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3.2 Abbreviations 
For the purposes of the present document, the following abbreviations apply: 

AMR  Adaptive MultiRate codec 
AVC Advanced Video Codec 
IETF  Internet Engineering Task Force 
IM Subsystem  Internet protocol Multimedia Subsystem 
ITU-T  International Telecommunications Union-Telecommunications 
RFC  IETF Request For Comments 
RTCP  RTP Control Protocol 
RTP  Real-time Transport Protocol 
SDP  Session Description Protocol 
SIP  Session Initiated Protocol 

 

 

 

6.2 Video 
3G PS multimedia terminals offering video communication shall support ITU-T recommendation H.263 [6] baseline. 
This is the mandatory video codec. 

H.263 [19] version 2 Interactive and Streaming Wireless Profile (Profile 3) Level 10 should be supported. This is an 
optional video codec. 

ISO/IEC 14496-2 [13] (MPEG-4 Visual) Simple Profile at Level 0 should be supported. This is an optional video 
codec. 

H.264 (AVC) [39] Baseline Profile at Level 1b [40] should be supported without requirements on output timing 
conformance (Annex C of [39]). Each sequence parameter set of H.264 (AVC) shall contain the vui_parameters syntax 
structure including the num_reorder_frames syntax element set equal to 0. 

The H.264 (AVC) decoder in a PSS client shall start decoding immediately when it receives data (even if the stream 
does not start with an IDR access unit) or alternatively no later than it receives the next IDR access unit or the next 
recovery point SEI message, whichever is earlier in decoding order. The decoding process for a stream not starting with 
an IDR access unit shall be the same as for a valid H.264 (AVC) bitstream. However, the client shall be aware that such 
a stream may contain references to pictures not available in the decoded picture buffer. The display behaviour of the 
client is out of scope of this specification. 

NOTE 1: Terminals may use full-frame freeze and full-frame freeze release SEI messages of H.264 (AVC) to 
control the display process. 

NOTE 2: An H.264 (AVC) encoder should code redundant slices only if it knows that the far-end decoder makes 
use of this feature (which is signaled with the redundant-pic-cap MIME/SDP parameter as specified in 
[41]). H.264 (AVC) encoders should also pay attention to the potential implications on end-to-end delay. 

 

9 Multimedia stream encapsulation 

9.1 MIME media types 
The terminal shall declare the mandatory and any optional media streams using the codec specific MIME media types 
in the associated SDP syntax. The MIME media types for the mandatory and optional codecs shall be according to the 
corresponding types registered by IANA. 

•  AMR narrowband speech codec MIME media type as specified in annex B. 



 

3GPP 

Error! No text of specified style in document.5Error! No text of specified style in document.

•  AMR wideband speech codec MIME media type is specified in annex B. 

•  H.263 [6] video codec MIME media type is specified in annex C. 

•  MPEG-4 visual simple profile level 0 MIME media type as specified in RFC 3016 [5]. 

•  H.264 (AVC) video codec MIME media type is specified in [41]. 

•  ITU-T Recommendation T.140 [25] Text Conversation MIME media type as specified by RFC 2793 [24]. 

•  Telephone-event MIME media type as specified by RFC 2833 [36]. 

•  DSR MIME media type as specified in draft-ietf-avt-rtp-dsr-codecs-00.txt [38] 

9.2 RTP payload 
RTP payload formats specified by IETF shall be used for real time media streams. 

RTP payload format for the AMR narrowband speech codec is specified in annex B. 

RTP payload format for the AMR wideband speech codec is specified in annex B. 

RTP payload format for the ITU-T Recommendation H.263 [6] video codec is specified in IETF RFC 2429 [3]. 

RTP payload format for the MPEG-4 visual simple profile level 0 is specified in IETF RFC 3016 [5]. 

RTP payload format for the ITU-T Recommendation H.264 (AVC) [39] video codec is specified in [41], where the 
interleaved packetization mode shall not be used. Receivers shall support both the single NAL unit packetization mode 
and the non-interleaved packetization mode of [41], and transmitters may use either one of these packetization modes. 

RTP payload format for the ITU-T Recommendation T.140 [25] text conversation coding is specified in 
IETF RFC 2793 [24]. 

RTP payload format for the telephone-event is specified in IETF RFC 2833 [36]. 

RTP payload format for the DSR Extended Advanced Front-end is specified in draft-ietf-avt-rtp-dsr-codecs-00.txt [38]. 
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