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Introduction
In the example configurations of 3GPP MTSINP MO [1], nodes for b=AS, RS, and RR of real-time text sessions are specified as undefined, following the practices in SDP examples of [1], [2]. In this contribution, we outline current specifications on these parameters and ask SA4 to clarify the bit-rate issues for T.140 real-time text, which can be used as an important measure in the emergency communication or for hearing-impaired population.
Specifications on b=AS & GBR for T.140
 In clause 6.2.5 of [1], it is specified as
The SDP shall include bandwidth information for each media stream and also for the session in total. The bandwidth information for each media stream and for the session is defined by the Application Specific (AS) bandwidth modifier as defined in RFC 4566 [8].
In clause 7.3.1 of [1], it is specified as

Therefore, an MTSI client shall include the "b=RS:" and "b=RR:" fields in SDP, and shall be able to interpret them.
In A.8 of [1], b=RS is set to 0 for any media in SDP but b=RR is set to 2000 (bps) for speech, 2500 (bps) for video session. Note that in A.5, SDP offer for text does not include any of these bandwidth parameters. However, in E.4, the uplink and downlink GBR/MBR for T.140 are specified as 3 and 4 kbps, for IPv4 and IPv6 addressing, respectively.
Proposal
It is apparent that the bandwidth parameters in the example configurations of 3GPP MTSINP MO shall be filled with appropriate numerical values, rather than left as undefined as currently. For this objective, decisions should be made by SA4 in the following issues:

· Whether to set RS to 0, as in A.8 for speech and video

· How to assign bit-rate to AS and RR
For example, we might set AS to 2 kbps, RS to 0 bps, and RR to 1000 bps, which are aligned with the values in the examples of E.4.
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