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The authors recognize that the potential standardization of the EVS codec represents an excellent opportunity to respond to the needs of the industry, especially by significantly enhancing speech services in LTE compared to what is available in today’s standards. In order to achieve this goal, the EVS Technical Report (the primary output document) has to be completed in the Rel-9 timeframe.
Both quality and capacity remain important objectives for EVS.  Capacity impacts call completion, call drops, and packet loss/delay, all of which are perceived as quality by end-users.  Therefore, quality and capacity are intimately related.
The key features of the potential EVS coder are hence:
· Enhanced quality through spectrally efficient audio bandwidth extension
· Enhanced capacity and robustness of NB and WB services
The authors contend that backward compatibility with legacy codecs is critical to the success of enhanced voice services, and is fully supported through codec negotiation.  However, an embedded codec structure with AMR-WB at its core imposes unnecessary constraints on enhancements related to robustness and spectral efficiency.  Furthermore, proposed features such as the enhancement of AMR-WB, and stereo and multi-channel support are not fully settled yet and require further discussion.

The authors request SA4 to take care to avoid unnecessarily constraining future enhanced voice services and codecs, reserving requirements in the TR to matters that are agreed as essential for EVS.  Leaving unnecessary features as optional offers the best opportunity for 3GPP to develop a codec that optimizes the key features noted above.  Further, SA4 should conduct more discussions on the remaining open issues, based on contributions, and complete the Technical Report as part of Rel-9, i.e. in December 2009 at the latest.

