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1. Overall Description

SA4 thanks RAN2 for their LS reply on CS voice over HSPA in R2-080619 (S4-080071).

The LS was discussed in SA4 #47 meeting (21 – 25 January, 2008). SA4 appreciates the information and clarifications on architecture, call scenarios and RAN performance aspects.

The QoS requirements in TS 22.105 for real time conversational voice are as set as follows: The preferred end-to-end one delay is < 150 ms and the maximum is 400 ms. Considering the figures available in RAN2 liaison the end-to-end delay when including also the encoding/decoding delays as well as de-jitter buffering seems to be acceptable.

The de-jitter buffer in a UE and RNC needs to be designed based on the maximum delay especially if a fixed buffer is utilised. An adaptive solution could apply the knowledge of the perceived delay conditions and optimise the buffering delay. 
2. Conclusion
SA4 notes that based on the information from RAN2 the additional E2E delay in CS voice over HSPA compared DCH is acceptable in terms of speech quality.
3. Date of Next TSG-SA WG4 Meetings:

SA4#48
7 – 11 April 2008
Jeju Island, South Korea
SA4#49
30 June – 3 July 2008
TBD
