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Proposed Meeting Agenda for SA4#42  
1.
Opening of the meeting: Monday January 29th, at 9:00 hours

2.
Approval of the agenda and registration of documents
2a, 3n 
3. Approval of previous meeting report 
761a

4.
Reports/Liaisons from other groups/meetings


4.1
TSG-SA#34 (4-7 December, 2006)
1n, 


573 (TSG-SA#33) -> pp to SA4#43
4.2
SA4 subgroups

4.2.1
MTSI ad-hoc #3 (11-13 December, 2006)
4a, 85n, 116n
4.2.2
Video ad-hoc teleconference (9 January, 2007)  oral report approved
4.2.3
PSM SWG meeting on PSSe and MBMSUSE (11-12 January, 2007)   18a
4.3
3GPP working groups
SAE/LTE:

 - Minimum number of supported SAE bearers in UE
569 (RAN2) & 747 -> companies to contact Frederic  -> 119
 - Service Requirement for MBMS LTE
597 (SA1) n, 12 (TSG-RAN)  -> PSM -> 131 -> 155
 - LS on Optimised voice scheduling in LTE
108 (RAN2), 65* -> MTSI (to be dealt immediately after afternoon coffee break on Wednesday) -> 171
 - Rate adaptive real-time media 
752 (RAN2) -> MTSI (to be dealt immediately after afternoon coffee break on Wednesday) -> 172
 - UL/DL Rate Policing in the eNB
13 (SA2) n

MBMS:

 - Multiple parallel MBMS Sessions
11 (RAN3) n 
 - Protected MBMS services over MBMS broadcast 
14 (SA3) -> PSM
Support of G.711
695 (CT4) -> Olle to draft LS -> 120
Local Service Change
15 (RAN2) n, 44 (SA2) n
4.4
Other groups
ISO/IEC 14496-20: Information technology 
7 (MPEG) -> PSM
DIMS and LASeR
106 (MPEG) -> PSM
Java Community Process (JCP)
20 (JCP JSR 287 Expert Group) -> PSM, 113 (JCP JSR 287 Expert Group) -> PSM
Fast RTP Tune-In of Live Streams 
49 (ISMA) -> PSM -> 133 (related CR in 151)  
DIMS and RME harmonisation
59 (OMA BAC MAE) -> PSM
ITU-T media coding summary database 
8 (3GPP2 TSG-C) n
Draft 3GPP TR 26.944  
9 (ETSI STQ Mobile), 10 (ETSI STQ), 110 (ITU-T SG 12) -> all 3 pp. to A.I. 5.2. ->  responses? 
Invitation to participate in GSC TASK FORCE 
109 (ITU-T SG 12) n 
Video and Audio Coding in DVB services 
111(DVB TM-AVC) -> PSM
Connexion of external hands-free and mobile phone
112 (Chairman of ITU-T Focus Group On From/In/To Car Communication) -> pp to A.I. 10
5.
Issues for immediate consideration  

5.1 
Coordination of VoIMS work (of WIs in Agenda Items 13.4, 13.5 and 13.6) 
48a -> David off-line drafting text to SA#35 -> 121u (to 13.5.1) -> 202a (note: “WID” -> “WI” & “Draft” and “buffer” removed in the title)
5.2
End-to-End Multimedia Services Performance Metrics  
9 (ETSI STQ Mobile) -> to be included to next version of the draft TR by TR Editor 
 

10 (ETSI STQ), 110 (ITU-T SG 12) -> E2EMSPM off-line session on Wednesday at 8:00 on QoE definition 


50a


51 -> the E2EMSPM off-line session on Wednesday at 8:00 will check if content should be included into the draft TR  

5.3
Transferring of Emergency Call Data – in-band modem solution
31n, 32 -> off-line at 8:00 on Thursday -> 178 (in 13.2)
Sub-Working-Group / ad-hoc sessions:
6.
Packet Switched Multimedia (PSM) SWG  

Agenda
19

PSSe and MBMSUSE
16, 17, 47, 69, 72, 75, 76, 77, 78, 79, 98, 101 
DIMS
28, 33, 34, 35, 36, 37, 38, 57, 58, 60, 61, 62, 91, 92, 99, 100, 
CRs
658&659->87&88, 89&90,
7. 
Speech Quality (SQ) SWG  
Characterisation of JBM for VoIP
53, 80*
Characterization of VoIMS over HSDPA\EUL
45, 46, 80*
8.
Video ad-hoc
Video Codec Performance Requirements 
102, 115
9. 
Multimedia Telephony Service for IMS (MTSI) ad-hoc

Agenda 
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MTSI Media Handling and Interaction 
52, 54, 55, 56, 63, 64, 65*, 66, 81, 82, 83, 84, 86, 93, 94, 95, 96, 97, 114
Plenary Session: 

10. 
Postponed Liaisons (from A.I. 4)  
(For postponed Tdocs from A.I. 4., see sequence of events under A.I. 4.)

New LSs received during meeting:
11. 
Reports and general issues from sub-working-groups/ad-hoc groups 


11.1
Video ad-hoc
179a
11.2
MTSI ad-hoc
177a
11.3 
SQ SWG 

11.4 
PSM SWG  

12.
Maintenance of features in Release 6 (and in earlier releases)
12.1
Performance characterisation of default codecs for PS conversational multimedia application 

12.2 
(Extended) Packet Switched Streaming Service  
39u->141a, 40u -> 182a, 41a, 42 -> 183a, 43a, 658&659 -> 87&88-> 184&185, 89a & 90->186a
12.3 
Extended AMR-WB codec  
 
12.4
MMS formats and codecs

12.5

Codec Work to Support Speech Recognition Framework for Automated Voice Services

12.6
Media Codecs and Formats for IMS Messaging and Presence

12.7
Codec Enhancements for Packet Switched Conversational Multimedia Applications  

12.8 
3G-324M Improvements


12.9
Selection of one or more codec(s) for PoC

12.10 
MBMS User Services
67&68->117&118-> 187a&188a, 70&71-> 189a&190a, 73&74 ->191a&192a
12.11 
Others  
561a, 21->161a, 22->162a, 23->163a, 24->164r, 25->165a, 26->166a, 27->167a, 29&30-> 193&194, 103a, 104a, 105 pp since off-line discussions needed, 107a
13.
Release 7 Work Items

13.1
End-to-End Multimedia Services Performance Metrics (SA4)   168 -> 196a 
13.2 
Transferring of Emergency Call Data – in-band modem solution (SA4)    178u->197a, 198
13.3 
Video Codec Performance Requirements (SA4) 
176u -> 201
13.4
Multimedia Telephony Service for IMS (SA1)

13.4.1 IMS Multimedia Telephony; Media Handling and Interaction (SA4)
Video:

56n
Simulation Results for MTSI Dynamic Video Adaptation Signalling, Qualcomm -> no agreement; the Tdoc may be taken for further discussion to SA4#42 plenary level
95->199 Update on Video support for MTSI, Ericsson -> time requested to check esp. H.264 level update -> decision pp to SA4#42 plenary level

97u
MTSI video jitter buffer, Ericsson -> off-line (contact Per) -> 127 to be taken directly to SA4#42 plenary level 
Other issues:
81u
Inter-working with non-MTSI VoIP clients, Ericsson -> 175 to SA4#42 plenary 
93 
File format and codecs used for MSRP transport in MTSI, Ericsson -> principle agreed, Annex will be reviewed later -> 174 to SA4#42 plenary 

Draft TS 26.114

173
TS 26.114 V1.3.0 Editor's update, Editor (Ericsson) -> to SA4#42 plenary 
13.5
Optimizations for Multimedia Telephony over IMS (SA4)

13.5.1
Characterisation of Adaptive Jitter Management Performance for VoIP Services (SA4)   
121 
13.6
Performance Characterization of VoIMS over HSDPA\EUL Channels (SA4) 


129, 147

13.7 
Dynamic and Interactive Multimedia Scenes (SA4) 
13.8
MBMS User Service Extensions (SA4)  
151 (related LS in 133), 143, 144, 145, 152, 146
13.9
Packet Switched Streaming Enhancements (SA4)   151,  154
14.
Other Work Items under the responsibility of other TGS/WGs impacting SA4 work


15. 
New Work / New Work Items   
47, 200
16.
Postponed issues


17.
Review of the future work plan (next meeting dates, hosts)
6n, 


Dates & host of SA4#43 -> current dates & France Telecom hosting in France, PSM April ad-hoc?
18.
Any Other Business
 
19. 
Close of meeting: Friday February 2nd, at 17:00 hours (at the latest)

_____________________

Tdoc “colour code”: 
black = submitted for the meeting by the Tdoc submission deadline


gray = submitted for the meeting after the Tdoc submission deadline


blue = postponed from an earlier SA4 meeting 


red  =  covered during this meeting


strikethrough = withdrawn

Conclusion codes:


a
= agreed/approved


n
= noted

u
= updated

r
= rejected


pp = postponed
Note: These conclusion codes appearing in the agenda are only informative and are given only for cases where such “simple conclusion” exists. Please refer always to the main body of the meeting report for precise and complete explanation of decisions for each document. 
Other notations:

* = allocated under more than one agenda item

-> = replaced by, [or] action follows 
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