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The AMR and AMR-WB are proposed as mandatory codecs for the transmission of the speech input signal in the scope of the Work Item “Speech Enabled Services” for REL6. 

These codecs provide the following advantages

· Provide full flexibility in the design of recognition algorithms 

· Allow high recognition performance due to low speech signal distortion and high channel error robustness

· Provide the same speech input for speech recognition in current speech services (via circuit switched speech transmission), as well as in future SES (using IMS transmission)

· Allow scalability to cover small vocabulary applications (command-and-control) by traditional narrowband speech coding and large vocabulary applications (telephony directory service) by wideband speech coding

· Allow optimal speech signal reconstruction and optimal speaker recognition 
for applications requiring documentation of transactions (e.g. bank transfers)

· Yield simplicity of system and terminal design 
(same codec for input and output as for speech telephony)

· Need zero additional terminal implementation costs

· Provide minimal signal delay and reaction time for smart user interaction

Thanks to these advantages there is no visible need for any additional codec for speech input in SES in REL6. 

No candidate for DSR-only will be provided by Ericsson.
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