
Fiｇ. 1   Configuration of test system (VoIP speech path only)
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Fig. 2   MOS for each condition

Samples



0%

10%

20%

30%

40%

50%

60%

70%

80%

90%

100%
a c e g i a c e g i a c e g i a c f i

P
S
T
N

Permissible Rate for each condition

V
o
ti
n
g 

R
at

e

Reject

Conditionally Permissible

Permissible

No-Disturbance
Loss　1％

Delay　５０ｍｓ

Variation　２５ｍｓ

　3％

　100ｍｓ

　50ｍｓ

　5％

350ｍｓ

100ｍｓ

C
e
llu

la
r

Fig. 3   Permissible Rate for each condition
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Fig. 4   Relationship between MOS and Permissible Rate
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Fig. 5    Absolute delay between End-to-End


