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Background 
In the IVAS Permanent Documents, "IVAS-8a: Test Plan for Selection Phase” [1] and “IVAS-7a: Processing plan for selection phase” [2], it is suggested that the audio file format for item sample collection and processing should be headerless PCM.  
More precisely in [1] it is stated in Section 3.1 “Overview of the Selection Test Process”: 
“[The LLs and volunteering contributors (SA4 companies) shall provide unprocessed 48 kHz sampled raw speech, mixed content and music samples to the MC.
The material collection entity (MC) shall control that the unprocessed raw material (both artificially created and real recorded) meets the requirements defined by SA4, collect a pool of model parameters and sound materials and choose the model parameters and sound materials to be used in the experiments in a randomized blind process.]”
Also, in Section 4.5 “Material” of [1]:
“All audio material shall be sampled at 48 kHz with Full Band (FB) content. The audio material is to be delivered to the HL as interleaved [headerless] format, 16-bit PCM in little endian files following the naming convention provided in the IVAS Processing Plan (IVAS-7a).”
Additionally, in Section 3.5 of the Permanent Document IVAS-7a “Processing plan for selection phase” [3], it is stated:
“The format of input/output audio files is headerless PCM with samples stored in 16-bit 2’s complement little endian format. For multi-track audio, the audio tracks are sample-wise interleaved in the order specified by the corresponding configuration in Table 5.”
The source finds that it is impractical to collect raw headerless material given that various input formats with various number of channels shall be tested. The source considers the use of Waveform Audio File Format (WAVE) material to be more suitable for the processing of a variety of input formats and more practical for use with the processing scripts. Files including a header are generally less error prone and therefore, errors in the processing could be detected more easily.

Proposal
Based on the above, the source proposes to agree to set the Waveform Audio File Format (WAVE) as the default audio file format for both the collection and processing (input/output format) of the audio test material and update the corresponding permanent documents. 
Therefore, it is proposed to modify the respective text in Sections 3.1 of [1] as follows:
[The LLs and volunteering contributors (SA4 companies) shall provide unprocessed 48 kHz sampled raw speech, mixed content and music samples in WAVE format to the MC.
The material collection entity (MC) shall control that the unprocessed raw material (both artificially created and real recorded) meets the requirements defined by SA4, collect a pool of model parameters and sound materials and choose the model parameters and sound materials to be used in the experiments in a randomized blind process.]
Section 4.5 of [1] as follows:
“All audio material shall be sampled at 48 kHz with Full Band (FB) content. The audio material is to be delivered to the HL as interleaved [headerless] format, 16-bit PCM in little endian WAVE format files, following the naming convention provided in the IVAS Processing Plan (IVAS-7a).”
And the respective text in Section 3.5 of [2] as follows:
“The format of input/output audio files is headerless PCM WAVE format with samples stored in 16-bit 2’s complement little endian format. For multi-track audio, the audio tracks are sample-wise interleaved in the order specified by the corresponding configuration in Table 5.”
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