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1. Introduction

This document presents high level principles for the prioritization of conditions to be tested in qualification, selection and characterization of the EVS codec.
2. Discussion
Initial deployments of the EVS codec will most likely be in a VoLTE ecosystem (VoIP) as an upgrade of the AMR-WB codec. This means that the EVS codec will have an identical operating space as that of the AMR-WB codec in terms of bitrates (below 24kbps) and use cases (conversational speech). EVS will, for the same costs in terms of bandwidth, offer improved quality or offer improved efficiency at an equivalent level of quality. In addition, EVS is expected to bring about improved quality through the introduction of SWB speech and enhanced robustness by being optimized for VoIP application (FER and JBM).
It is therefore important that candidates that are retained in the qualification phase show the most promising performance from a usage point of view of the EVS codec in VoLTE and that testing should have VoIP, speech and bitrates below 24kbps as priority themes.   

3. Proposal 
The source proposes that the prioritization of testing for qualification takes into account the most relevant features of the EVS codec related to its initial deployment. It is therefore proposed that in selecting the most promising candidates for qualification, priorities should be given to the following:

· Wideband and Super-wideband speech.

· Bitrates below 24kbps

· FER and JBM conditions
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