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Abstract of the contribution: This paper proposes the single radio Mid-call services continuity flow when the non ICS UE attached on MSC enhanced for SRVCC.
1. Proposal 
This paper proposes to add the following flow to 23.838 
***********change start**********
5.3.x
non ICS UE attached on MSC enhanced for SRVCC - SRVCC Scenario

5.3.x.1 overview

TS 23.237 have described a SRVCC solution to transfer from PS to CS, but the main disadvantage is that can’t support mid–call services transfer. When using the enhanced MSC for SRVCC, solutions based on 3GPP TS 24.008 signalling may be possible without the need for ICS. 

In this paper we give a solution to support the mid call services transfer based on 24.008 signalling without requiring ICS support in the network or the UE. First based on TS 23.216, UE transfers from PS access to CS access. After attached on CS access, the UE sends UUI message via the target CS access including an STI indicating establishment of the service control signalling for the first active session to be transferred. The MSC Server enhanced with SR-VCC collated with an MGCF interworks it with an INVITE containing an STI and sends the INVITE to SCC AS on the Mg reference point.

Subsequently, the UE initiates the transfer of the remaining sessions (active and/or held) using the UUI signalling, which is interworked with the Mg reference point at the MSC Server, identifying service control signalling for each using the STI associated with the session(s) at session setup.

5.3.x.2  non ICS UE attached on MSC enhanced for SRVCC - SRVCC Scenario
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1. MME sends Forward Relo request to MSC server to transfer session.

2-3. MSC server sends the INVITE including STN-SR to SCC AS to transfer the session.

4-5. SCC AS sends the reINVITE to UE C to transfer the session 2 to CS.
6. UE sends an UUI message including STI1 and STI2 to MSC Server.

7-8. MSC server sends the INVITE to SCC AS including an UUI header which is filling STI 2 identifying the source Access Leg for A-C session as well as a new STI2’ allocated for target Access Leg for A-C session to set up session control signalling for session 2.

9-10. MSC server sends the INVITE to SCC AS including an UUI header which is filling STI 1 identifying the source Access Leg for A-B session and the SDP hold indication as well as a new STI1’ allocated for target Access Leg for A-B session 
11-12. SCC AS sends reINVITE to UE B via the S-CSCF to update the SDP.
***********change end**********
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