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Abstract of the contribution: This paper proposes texts for origination and termination procedures in IMS Session Continuity TS. 
1. Proposal
It is proposed to insert the following texts to 3GPP TS 23.237.
=== First Change ===
2
References

The following documents contain provisions which, through reference in this text, constitute provisions of the present document.

· References are either specific (identified by date of publication, edition number, version number, etc.) or non‑specific.

· For a specific reference, subsequent revisions do not apply.

· For a non-specific reference, the latest version applies. In the case of a reference to a 3GPP document (including a GSM document), a non-specific reference implicitly refers to the latest version of that document in the same Release as the present document.

[1]
3GPP TS 23.292: "IP Multimedia Subsystem (IMS) centralized services; Stage 2".

[AA]
3GPP TS 23.228: "IP Multimedia Subsystem (IMS); Stage 2".

=== Second Change ===
6.3
Origination and Termination

Editor’s note:
Reference TS 23.292 in the case of general origination and termination. IMS service continuity specific origination and termination should be documented in this section. 
6.3.1
General

Multimedia sessions to the SC subscribers coming from the IMS or the CS domain are anchored with the functionality provided by the SC AS to facilitate multimedia session continuity and the sessions may be delivered to the UE via the IMS or the CS domain. The SC AS may merge multiple related sessions into one session before forwarding the session request to the terminating SC UE. The SC may split an incoming multimedia session into multiple sessions before forwarding the session requests to the terminating SC UE(s). . In order to avoid a situation where other SIP Application Servers that will be used for the duration of the session are released upon session continuity, the SC AS should be the last Application Server of any Application Servers that need to remain in the path of the call after session continuity.
6.3.3 
Terminations

6.3.3.1
Terminating sessions using CS media
The procedures specified in TS 23.292 [1] shall be followed to terminate sessions using CS media to the SC subscriber. The service logic invoked for the SC subscriber results in routing of the sessions to the SC AS in the home IMS network, where the SC AS uses 3rd party call control as per TS 23.228 [AA] to terminate the session to the SC subscriber.
6.3.3.1.1
CS Termination
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Figure 6.3.3.1.1-1: CS termination anchored at the SC AS

1.
UE-2 sends INVITE to UE-1 to establish a session and the INVITE reaches the S-CSCF serving UE-1.

2.
The S-CSCF invokes appropriate service logic for UE-1.

3.
The S-CSCF forwards the INVITE to the SC AS.

4.
The session is anchored at the SC AS.

5~6.
The SC AS determines that the call will be delivered on the CS domain and sends INVITE to the ICS/Interworking nodes.

7.
The ICS/Interworking nodes interacts with UE-1 and set up CS call.

8~11.
The session is established between UE-1 and the remote end point.

6.3.3.1.2
PS and CS Combined Termination
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Figure 6.3.3.1.2-1: PS and CS combined termination anchored at the SC AS

Editor Note: This flow needs revision based on discussion regarding T-ADS execution by the ICS interworking

1.
UE-2 sends INVITE to UE-1 to establish a session with both speech and non-speech components.

2.
The S-CSCF executes any service logic as appropriate.

3.
The S-CSCF forwards the INVITE to the SC AS based on iFC triggers.

4.
The session is anchored at the SC AS. Based on operator policy and on information indicating that UE-1 is accessible over both the PS and CS domains, the SC AS decides to split the session over PS and CS domains. This behaviour is similar to the behaviour of a CSI AS specified in TS 23.279 [9]

5~6.
The SC AS sends INVITE for the non-speech part of the session. The INVITE contains MST information indicating that the speech component will be established from the CS domain.

7~8.
The SC AS sends INVITE for the speech part of the session and the S-CSCF forwards the INVITE to the ICS/Interworking nodes.

9.
The ICS/Interworking nodes set up call to UE-1 with CS bearer.

Editor's Note:
It is FFS whether MST information needs to be included in step 7~9.

10~11.
The speech part of the session is established.

12~13.
The non-speech part of the session is established.

14~15.
The session is established between UE-1 and the remote end point.

6.3.3.2
Terminating sessions in IMS domain
Existing Mobile Termination procedures described in TS 23.228 [AA] clauses 5.7.1, 5.7.2, 5.7.2a are used to establish a session towards a SC UE. The service logic invoked for the SC subscriber results in routing of the IMS terminating session to the SC AS, where it uses 3rd party call control as per TS 23.228 [AA] to initiate a session to the SC subscriber.
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