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Abstract of the contribution: Proposes additional condition that Video is only for UTRAN access network.

Discussions
TR 23.892 section 7.6 concluded that bi-direction video may be transmitted only via UTRAN access network and based on UE capability.
7.6
Conclusion on handling of multiple media for IMS Centralized Services
Speech media of a session may be transmitted over CS access. Bi-directional video may be transmitted multiplexed with speech over CS access (BS30) only in case UTRAN is used as access network and based on operator policy and UE capabilities. Video and other media components of a session may also be transmitted via PS access.
When bi-directional video is transmitted multiplexed with speech over CS access, for the SIP Application Server approach with I1-ps and I1-cs, the interworking between H.245 and SIP/SDP shall be done by the MGCF and IM MGW as described in 3GPP TS 29.163[18]; for the enhanced MSC‑Server approach, similarly, the enhanced MSC server and MGW shall provide the interworking between H.245 and SIP/SDP.
Proposal/Recommendation:
The following changes are proposed to be accepted and incorporated to the next version of TS 23.292.
4.4.2
ICS UE Session Scenarios

When an ICS UE accesses IMS services over a CS network, or a PS network which do not support the full duplex speech component of the IMS multimedia telephony service, then the following IMS session scenarios shall be supported according to the procedures specified in TS 23.228 [2], along with the solution specified in this document.

For the following scenarios, video service is only applicable with a device and a network that are capable of video application and over the UTRAN access network.

1. Basic voice or voice and video service origination and terminating sessions.

2. Voice or voice and video origination and termination service sessions with Line ID services (e.g. OIP, OIR, TIP, TIR) controlled in IMS.

3. Voice or voice and video origination and termination service sessions with Communication Barring services controlled in IMS.

4. Voice or voice and video termination service sessions with Communication Diversion services controlled in IMS.

5. Voice or voice and video origination and termination service sessions with mid-call services (e.g. Hold/Resume, Conferencing, CW, ECT) controlled in IMS.

6. Communication services setting modifications (e.g., changing forwarding info or activating barring services, etc).

7. The solution shall provide generic capabilities to enable introduction of new IMS services utilizing CS bearers without further standardisation.
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