SA WG2 Temporary Document

Page 1
-


3GPP TSG SA WG2 Architecture — S2#59
S2-073308
27- 31 August 2007

Helsinki, Finland,
Source:
LG Electronics, Orange, Telecom Italia, Huawei, TOSHIBA
Title:
Information flows for session continuity between PS access systems
Document for:
Discussion and Approval
Agenda Item:
9.7.2.4
Work Item / Release:
MMSC / Release 8
Abstract of the contribution: This paper proposes the information flows for session continuity between PS access systems.
Introduction
The follow figures describe the information flow for session continuity between PS access. 
In this figure the UE has an active multimedia session including speech and non-speech media components with UE-2 via PS1 access system. After getting new access via PS2 access system, the multimedia session is transferred to the PS2 access systems for session continuity.
Proposal

This paper proposes to insert following text into the TR 23.893 as information flow for session continuity between PS access systems for the MMSC user.
( FIRST CHANGE (
Figure X.1 describes the information flows for multimedia session continuity between PS accesses for a MMSC user. In this figure the UE has an active multimedia session with UE-2 via PS1.
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Figure X.1. Information flow for PS to PS multimedia session continuity
1.
The MMSC user originates a multimedia session including speech and non-speech media components in PS1 access systems.

2.
The P-CSCF1 routes the INVITE to the S-CSCF.

3. 
The S-CSCF invokes the necessary service logic as appropriate.

4.
The S-CSCF forwards the INVITE to the MMSC AS over the ISC interface.

5.
The SSMF/eDTF of the MMSC AS anchors the multimedia session depending on operator policy.

6.
The SSMF/eDTF sends the INVITE to the S-CSCF.

7. 
The S-CSCF invokes the necessary service logic as appropriate. And the S-CSCF routes the INVITE to the UE2 per TS 23.228 [xx].
8-12.
The UE2 accepts the initial session setup by sending to UE1 a 200 OK response. The S-CSCF receives the 200 OK response from the remote party. The S-CSCF forwards the 200 OK response to the MMSC AS. The MMSC AS accepts session continuity message from the UE2 by sending to UE1 a 200 OK response.
13.
The UE1 connects to PS2 and registers to the S-CSCF through P-CSCF2. The UE1 decides to perform PS to PS session continuity based on IMS Network controlled session continuity information received prior from the IMS Network.

14.
The UE1 originates a INVITE message in the PS2 access system towards the SSMF/eDTF in MMSC AS. The INVITE message includes SC information which notifies to the MMSC AS that this session is for session continuity.
15.
The P-CSCF2 routes the INVITE to the S-CSCF.
16.
The S-CSCF invokes the necessary service logic as appropriate.

17.
The S-CSCF forwards the INVITE to the MMSC AS over the ISC interface.

18.
The SSMF/eDTF of the MMSC AS correlates and updates the multimedia session based on the SC Information.

19.
The SSMF/eDTF The SSMF/eDTF sends the re-INVITE to the S-CSCF for session update.

20.
The S-CSCF invokes the necessary service logic as appropriate. And the S-CSCF routes the re-INVITE to the UE2 per TS 23.228 [xx].

21-25.
The UE2 accepts the re-INVITE by sending a 200 OK response. The S-CSCF receives the 200 OK response from the remote party. The S-CSCF forwards the 200 OK response to the MMSC AS. The MMSC AS accepts session continuity message from the UE2 by sending to UE1 a 200 OK response.

26.
The source Access Leg which is the Access leg previously established over PS1 access system is subsequently released by the MMSC AS
.

( End Change (
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 CSI 단말이 등록됨
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908. Voice call을 위한 INVITE message를 CS domain을 통해 CSI 단말로 전송. 
MSRP를 위한 INVITE message는 IMS domain을 통해 CSI 단말로 전송.


916.  INVITE message를 CS domain을 통해 CSI 단말로 전송. 


910. 두 INVITE에�

918. 응답 메시지를 상대편 단말에게 전달함.
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