Error! No text of specified style in document.
2
Error! No text of specified style in document.

3GPP TSG SA WG2 #53
S2-062168
Lisbon, Portugal, 26 - 30 June, 2006
Source: 
Motorola
Title: 
CSI AS mapping of SIP URI to Tel URI
Document for:
Discussion and approval

Agenda item:
7.2
Work Item / Release:
CSI interworking / Release 7

1
Introduction

When a UE of IMS origination initiates an IMS session toward a UE of CSI termination, it sends an INVITE message that can include a SIP URI. This INVITE message is routed to the CSI AS which decides to route the real-time media over the CS domain. In this case, the CSI AS must send an INVITE message that contains a Tel URI in the request URI. Consequently, the CSI AS shall be able to map a SIP URI to an associated Tel URI.
**** FIST CHANGE ****

6.2
CSI Application Server (CSI AS)
CSI AS is a functional entity that control CSI interworking. When CSI AS receives the session from the S-CSCF, it performs termination logic. 

The main functionality of the CSI AS is: 

· to register the UE which has CSI capability via 3rd party registration when the UE registers to IMS;

· to control the CSI termination by implementing a 3rd party call control logic (as per TS 23.228, clause 4.2.4); and

· to perform termination logic, i.e. examine the media components of an IMS session targeted toward a CSI capable UE and make a decision how to terminate them;
· to map a SIP URI to an associated Tel URI, in case the CSI AS decides to terminate an IMS session or part of the IMS session to the CS domain, and the CSI AS received a SIP URI of the called CSI capable user;
· to decide whether to keep in the session path or not;

· to handle session separation/forwarding/combining;

Below are some of the factors which could influence the terminating session handling.

· SIP Feature tags or Service IDs or lack thereof;

· SDP Media components;

· UE capabilities

It is FFS whether the additional information are needed to be considered. 
**** END OF PROPOSED CHANGES ****
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