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1 Introduction

In order to route a call to a UE the network needs to be aware of certain conditions:

· If the UE is on an IP-CAN that can support voice.   The UE could have registered with the IMS network via GERAN, however the registration message will signal "GERAN" in the P-Access-Network-Info header information.  Only the UE has the knowledge that the IP-CAN is VoIP capable.   There is no concept of an IMS registration for IMS and another for VCC.

Text from 24.229 section 7.2A.4.3
the access-type field set to one of "3GPP-GERAN","3GPP-UTRAN-FDD", "3GPP-UTRAN-TDD", "3GPP-CDMA2000", "IEEE-802.11a" or "IEEE-802.11b" as appropriate to the radio access technology in use.

· If the UE has the capability of receiving a service in multiple domains.  There is no point in routing a Multi-media telephony call to a UE that cannot support it.  A subscriber can remove their (U)SIM and put it in any UE e.g. CSI which may not support Multi-media telephony.

· The state of the UE in the CS network.  There maybe no point in trying to route a voice call to the CS network if the UE is known to be detached.

*****Proposed text*****

4.3  Domain selection

For determining which domain shall be selected to terminate the voice call,.  the domain selection function shall be able to use the following:

· The state of the UE in the circuit switched domain. This state information shall include:  Detached, Attached.

· The UE capability to support IMS Voice Services as described in TS 22.228.

· The state of the UE in the IMS domain.  The state information shall include:  Registered, Deregistered.
· The capability of the IP-CAN to support VoIP. 

Editors note:  The use of the term VoIP and "IMS Voice Services" may change subject to a response to an LS to SA1
