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7.4.23
Anonymus Call Rejection (ACR) with Anonymus Communication Rejection (ACR)

This section deals with the interworking of:

1. The interworking of the ACR Supplementary Service executed within the PSTN/ISDN with the TISPAN NGN  and;

2. The interworking of the ACR Simulation Service executed within the TISPAN NGN with the PSTN/ISDN.

The Reason Header shall be mapped to the Cause Value. The following procedures shall apply 

NOTE:
When interworking with existing implementations, the cause value 24 "call rejected due to ACR supplementary service" indicating that the call was rejected due to the ACR service, may be lost.
7.4.23.1
 SIP-ISUP protocol interworking at the I-MGCF

7.4.23.1.1
Coding of 183

If the service is processed within the PSTN/ISDN the following procedures shall apply.

Rapporteurs comment: The following text is taken from the ETSI ACR specification:

When a call is rejected due to the ACR supplementary service, the calling user shall receive an appropriate indication by either;

· sending a Release message as specified in the "Unsuccessful call set-up" clause of [61] with cause value 24 "call rejected due to ACR supplementary service" as specified in EN 300 485 [61]; or

· by sending an Address Complete or Call Progress message, that may include cause value 24 and applying an
in-band announcement as specified in the "Tones and announcements" clause of [61]; or

· the call may be forwarded to a voice message service to provide an announcement.
( This shows that sending a ACM is appropriate.

Rapporteur’s comment: How do we know that a Announcement is used. Information Flow is needed. IETF early media draft could be used.

If the I-MGCF is able to detect the announcement then:

A ACM shall be mapped to a 183. 

· The Cause Value 24 "call rejected due to ACR simulation service"shall be mapped to the Reason header field of the 183 Session Progress response.

· The Announcement shall be forwarded to the UE:A
7.4.23.1.2
Coding of the REL to 603
If ISUP Cause Value field in the ISUP REL includes Cause Value 24 "call rejected due to ACR supplementary service" the I-MGCF maps this to 603 including a Reason header with a Cause Value 24 "call rejected due to ACR supplementary service" and a warning header with the "warn-code" 399 (Miscellaneous warning) and “warn text” ( that is due to the requirements of the operator e.G. “Your Call has been rejected because your number Identity was not present”)
7.4.23.2
SIP-ISUP protocol interworking at the O-MGCF

7.4.23.2.1
Coding of ACM

Rapporteurs Comment: How do we know that a Announcement is used. Information Flow is needed. IETF early media draft could be used.

If the O-MGCF is able to detect the announcement then:

If a announcement is served by TISPAN NGN a 183 must be mapped to the ACM including: 

· A Backward call indicators including the Called Party's Status Indicator = "no indication"

· A Optional Backward indicator where the In-band information indicator = “in-band information or an appropriate pattern is now available”
· The Cause Value shall be taken from the Reason header field.

Rapporteur’s Comment: more consideration Is needed

7.4.23.2.2 Receipt of 603
If the Reason header field includes Cause Value 24 "call rejected due to ACR supplementary service" in a 603, then the Cause Value shall be mapped to the ISUP Cause Value field in the ISUP REL.
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