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DISCUSSION
Probably some re-scoping of the IMS WebRTC integration work for Rel-13 is useful to keep the time frame for this release and the given time budged in SA2. Let’s consider the 5 key issues listed in TR 23.706:
Key issue 1: WebRTC support of IMS subscriptions corresponding to users managed by third parties (Section 5)
Editor’s Note: section 5 is related with SA1 requirements where “The subscription corresponds to a class of users supported by the WebRTC environment (e.g., enterprise associates) rather than a single end user”.

Work has been deferred from Rel-12; there is most probably a valuable business case.

This is the main objective for this release and the overall progress in SA2 is quite good.

Five different solutions are available, two of them are solutions which may be selected on top of others, i.e. basically a decision is required between three solutions in section 5 (solution 1, 2 and 3).
As this is the main objective for this release and SA2 has already spent quite some significant effort to this, SA2 should continue working on this. Otherwise, as the business needs are still not urgent, it wouldn’t harm to defer this enhancement once more.
Key issue 2: Third-party realization of communication services (Section 6)
Editor’s Note: section 6 is related with SA1 requirements for “third-party realization of communication services (e.g., enterprise) either instead or in addition to those provided by the IMS operator”. It studies the case where terminals use WebRTC based communication means and are first served by a Third party entity (e.g. PBX) that provides some communications services but also interfaces with an IMS network for other communication services. 

Two solutions are provided in the TR.
The first solution introduces another Gm based IP-PBX variant (on top of the existing ones); the impacts to P-CSCF (not eP-CSCF!) are still FFS.
The second solution suggests a de-composed architecture, which suggests splitting eP-CSCF into two entities and connecting those two by a Gm like interface. Such split has already been rejected in Rel-12 as it cannot avoid impacts to existing P-CSCF. The general support was not overwhelming so far.
The overall business case is also not very clear and none of the solutions rely on the Rel-12 WebRTC architecture. It is recommended that SA2 should stop working and use the time for other WebRTC key issues.
Key issue 3: Interworking of Rel-12 or earlier IMS services with WebRTC (Section 7)
Editor’s Note: The first action to be carried out is to determine whether SA2 work is needed in this area.

This key issue is a collection of functionalities (1-4).
1. Service control based on 3rd party WWSF: “The identity of the third party WebRTC server is transmitted to the S-CSCF via eP-CSCF during the registration procedure. The S-CSCF can notify the AS via which third party WebRTC server the WebRTC user is accessing the IMS core, either in the registration procedures or in the call procedures. Thus the AS can implement flexible service control according to not only the IMS user service subscription but also certain third party WebRTC server service control policy, where the third party service control policy is preconfigured in the AS or downloaded from HSS.”
The solution seems to be easy, but there is no real requirement for it. SA2 should not continue working on this.

2. SRVCC false trigger. This requires a solution! There are several options are suggested in the TR. Option 1 seems to be unreliable. Option 3 is undesirable. The APN based solutions (option 4 and 5) seem to be the best choice and should be depicted. Option 2 may be an option if options 4 and 5 have issues, but it may probably impact eP-CSCF as well (not just PCRF).
3. SMSMI, i.e. SMS interworking for WebRTC: Browsers will not implement the SMS stack and implementing SMS with JS seems to be mess as well. For browser environments, there are other options for messaging. The solution looks very complex and the use case less promising, so SA2 should stop working until receiving real market requirements.

4. IUT for WebRTC. IUT is not a success in IMS today, so it does not make much sense to port this service to the WebRTC environment. There is no use case and the solution is complex. SA2 should stop working on it immediately.
Key issue 4: Architectural aspects for minimizing the need for bearer level protocol conversion (Section 8)
Editor’s Note: The first action to be carried out is to determine whether SA2 work is needed in this area.

Overall good progress, two solutions are available:
1. The first solution is based on various SDP manipulations done by the eP-CSCF, which ends up that the media by-passes IMS and goes end-to-end between two WICs. The solution can be considered as a lightweight alternative to OMR, which may have impacts for interoperability and existing OMR procedures. 
2. The second solution relies on OMR procedures. Whether there are changes to existing procedures required still needs to be verified. My impression is that a majority in SA2 seems to support that option. 
We do not see a big market need and interaction with LI may become a challenge too. If we decide to continue than we should select option 2.
Key issue 5: Architectural aspects to support for end to end WebRTC security (Section 9)
Editor’s Note: The first action to be carried out is to determine whether SA2 work is needed in this area.

We believe that this should be handled by SA3 and we should add some text accordingly to the conclusion part of the TR. SA2 should let it up to SA3 to progress this key issue, if needed.
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