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Abstract: This document proposes a use case and related potential requirements to be included in FS_MMTELin5G TR 22.873.
---------- Use Case template ----------
5.X
Real-time speech recognition
5.X.1
Description

People may need to communicate with others speaking different languages.  With AI technology(e.g. Skype translator), it is possible to provide instantaneous voice translation for the calling parties in a call and further perform speech-to- text for the translated voice. 

5.X.2
Pre-conditions

User A and user B speak different languages. 
5.X.3
Service Flows
1. User A makes an audio or video call to user B.

2. User B’s voice is recognized and translated to user A’s chosen language and the translation will be shown as texts or subtitles on user A’s smartphone screen during the call.

3. User A’s voice is recognized and translated to user B’s chosen language and the translation will be shown as texts or subtitles on user B’s smartphone screen during the call.
4. User A and user B are able to communicate in their native languages.

5.X.4
Post-conditions

User A and user B can see the translated texts on their screens synchronized with the voice and video.
5.X.5
Existing features partly or fully covering the use case functionality
None identified.
5.X.6
Potential New Requirements needed to support the use case
The IMS Multimedia Telephony service shall support adding translation services to a MMTEL call.
NOTE :     Based on operator’s policy, regional privacy regulation and user consent on privacy, users may be informed that a translation service is used.

NOTE :    Translation service is out of 3GPP scope.

The IMS Multimedia Telephony service shall support synchronization of real-time text and voice/video media in a call.
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