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change:

In the SCP initiated calls the following functionalities shall be supported;

· Create multiple call parties in a single CAP dialogue and connect them together when they have answered.

· Once a called party has answered the SCP/CSE shall be able to connect a announcement / collect in-band digits– otherwise he/she would clear the call.

· As previous item; In a wake-up call SCP/CSE shall be able to connect an announcement to called party at answer.
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****    FIRST MODIFIED SECTION    ****

8
CSE initiated call set up

The purpose of this procedure is to allow the CSE to initiate a call. The CSE shall send a request to initiate a call attempt by creating a connection from the IPLMN/VPLMN to an initial call party. The CSE shall be able to create multiple called parties in a single dialogue. The CSE shall always arm all events pertaining to unsuccessful call connection and to answer for each called party, and then the CSE shall request continuation of the call process before any other activities are performed on the initial call party.

The information that it shall be possible to receive in the initiate call attempt request is listed in table: A-2 (CSE initiated call set up).

Upon receipt of  an answer or unsuccessful call establishment event then the event is reported to the CSE.
Upon answer the CSE shall be able instruct the IPLMN/VPLMN to act as described below.

· order in-band user interaction for the answered party.

· Establish speech connection with the other parties that have answered to the call.
The following information shall be provided to the CSE: 

-
Event met; 

-
The party in the call for which the event is reported (only Called party applicable);

-
Type of monitoring.

Processing then continues as defined in the section 5 for forwarded calls, i.e. DTMF Mid Call and AoC are not applicable for CSE initiated calls.

[Editors Note: The reference has to been checked after inclusion of respective chapter] 







