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Introduction

Norbert Klehn of 3GPP N3 has been contacted and the summary of our discussions was distributed to 3GPP S1 for discussion. 

Only one reply (From Chair S1) was received.

There is an input paper (TSG S1 (99)568) from N1 which will be presented to the meeting by Mr Yahagi of NEC.

E-Mail Discussion

I have now had a telephone conversation with Norbert Klehn. It appears that

the problem lies in the last sentence of Section 5.2 of TS 22-105

'It shall be possible to negotiate / re negotiate the characteristics of a

bearer service at session / connection establishment and during an on going

session / connection'.

They are happy to define what type of call is going to be used at the start

of a session, but can see some problems when the nature of the call changes.

If a call is optimised as a voice call then the bearers that are allocated

may not be able to cope with a switch to a multimedia call. The capabilities

of a fixed wire connection may also limit the capabilities.

Two solutions that we considered were either this capability was limited to

Multimedia calls or at the time of call set up it is indicated that this

call may want to negotiate / re negotiate the characteristics of a bearer

service at session / connection establishment and during an on going session

/ connection'.

I hope that this clarifies matters and provides some basis for more

discussions.

Input From Chairman

I seem to recall that we meant what we said when we wanted to avoid the

limitations inherent in ISDN (and hence GSM but not PSTN) whereby 'in call

modification' was a difficult task and really only implemented within the

facsimile case.

I would be very cautious of expecting users to specify at call set-up that

they might want to modify their call, since this is complicated to explain

as well as to implement and must not use up extra resources. It seems easy

to provide with packet and if we want it for circuit also, then it should be

provided in the simplest way possible. Callers should be able to make a

normal telephone call and only use the extra resources (with implied extra

cost) if and when they actually want to.

If the problem is only one of interworking to the ISDN, then maybe

alternative approaches to this interworking could be considered.

I would propose that we keep the text of 22.105 unchanged, but would welcome

a short debate on the subject in Munich.

Best Wishes,

Wayne

