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A.2.14
181 Call is being forwarded

	Header/param
	Value/remark
	Rel
	Reference

	Status-Line
	
	
	RFC 3261 [15]

	
SIP-Version
	SIP/2.0
	
	

	
Status-Code
	181
	
	

	
Reason-Phrase
	Call is being forwarded
	
	

	Via
	
	
	RFC 3261 [15]

	
via-parm
	same value as received in INVITE message
	
	

	From
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in INVITE message
	
	

	
tag
	local tag of the dialog ID
	
	

	To
	
	
	RFC 3261 [15]

	
addr-spec
	same value as received in INVITE message
	
	

	
tag

	remote tag of the dialog ID
	
	

	History-Info
	
	
	RFC 7044 [83]

	
hi-targeted-to-uri
	<sip:user@company.com>
	
	

	
hi-index
	1
	
	

	Call-ID
	
	
	RFC 3261 [15]

	
callid
	same value as received in INVITE message
	
	

	Session-ID
	
	
	draft-kaplan-dispatch-session-id [115]

	
sess-id
	same value as received in INVITE message, if Session-ID header field exists in received INVITE message, otherwise, not present.
	
	

	CSeq
	
	
	RFC 3261 [15]

	
value
	same value as received in INVITE message
	
	

	Content-Length
	
	
	RFC 3261 [15]

	
value
	0
	
	


<End of Change 2>
