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*****  Beginning of Added Section  ********

C.43
Generic Test Procedure for UE receiving SIP REFER request for transfer of additional CS to PS call

Test procedure:
1. The UE waits for the SS to send a REFER request in dialog of INVITE to STI-rSR for transfer of 2nd call

2. The UE responds to the REFER with a 200 OK response

3. The UE sends INVITE request for transfer of additional call  

4. The SS responds to the INVITE with a 200 OK response.


5.  The UE sends ACK for receipt of 200 OK
Expected sequence:

	Step
	Direction
	Message
	Comment

	
	UE
	SS
	
	

	1
	(
	REFER
	The SS sends REFER request 

	2
	(
	200 OK
	The UE responds with 200 OK.

	3
	(
	INVITE
	The UE sends INVITE for transfer of additional call 

	4
	(
	200 OK
	The SS responds with 200 OK.

	5
	(
	ACK
	UE acknowledges the receipt of 200 OK for INVITE


Specific message contents:
REFER (Step 1)
Use the default message “MT REFER” in annex A.2.12 with the following exceptions:

	Header/param
	Value/remark

	Request-URI
	SS sends REFER request in the dialog of the INVITE to STI-rSR for transfer of second call

	Refer-To
	

	
addr-spec
	SIP or Tel URI of the transfer target

	To
	

	
addr-spec
	SIP URI of the UE which must be the same URI as used for UE in the earlier requests within the dialog created by the INVITE sent by the UE when initiating the call to be transferred

	
tag

	no tag given

	CSeq
	

	
value
	must be present, value not checked


INVITE (Step 3)
Use the default message "INVITE for MT Call" in annex A.2.9, with the following exceptions:

	Header/param
	Value/Remark

	Supported
	

	    option-tag
	precondition

	Message-body
	The following SDP types and values.

Session description:

· v=0
· o= - 1111111111 1111111111 IN (addrtype) (unicast-address for SS)

· s=IMS conformance test
· c=IN (addrtype) (connection-address for SS)

· b=AS:3
Time description:

· t=0 0
Media description:
· m=text (transport port) RTP/AVP  99 101
· b=AS:3
· b=RS:0

· b=RR:500

Attributes for media: 

· a=rtpmap:99 t140/1000

· a=rtpmap:101 red/1000

· a=fmtp:101 99/99/99
Attributes for preconditions:

· a=curr:qos local sendonly 
· a=curr:qos remote none
· a=des:qos mandatory local sendonly
· a=des:qos optional remote sendonly



*****  End of Added Section  ********

