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3
Definitions, symbols and abbreviations

For the purposes of the present document, the terms and definitions given in TR 21.905 [1] and the following apply. A term defined in the present document takes precedence over the definition of the same term, if any, in TR 21.905 [1].
<END OF MODIFIED SECTION>
<START OF MODIFIED SECTION>
C.30
Generic test procedure for Mobile Initiated Deregistration
The generic test procedure:


IMS deregistration is initiated on the UE. SS waits for the UE sending a REGISTER request, in accordance with  3GPP TS 24.229 [10], clause 5.1.1.6 
Expected sequence:

	Step
	Direction
	Message/Procedure
	Comment

	
	UE
	SS
	
	

	1
	(
	REGISTER
	The UE sends deregistration for IMS services

	2
	(
	200 OK
	The SS responds to REGISTER with 200 OK

	
	
	
	

	
	
	
	


Specific message contents

REGISTER (step 1)

Use the default message “REGISTER” in annex A.1.1 with condition A2 or A3 in accordance to 3GPP TS 24.229 [10] clause 5.1.1.6 with the following exceptions:
	Header/param
	Value/remark

	Contact
	

	
addr-spec
	SIP URI with IP address or FQDN and protected server port of UE or *

	
expires
	0 (if present)

	Expires 
	(must be present if addr-spec is *)

	
delta-seconds
	0 (if present)

	Supported
	header may be missing or it may contain any value

	Authorization
	

	
nonce-count
	value not checked


200 OK (step 2)

Use the default message “200 OK for REGISTER” in annex A.1.3 with the following exceptions:

	Header/param
	Value/remark

	Contact
	

	
addr-spec
	same value as in REGISTER request if "*" is not included in the Contact header field of the REGISTER request in step 1

same value as in the Contact header field of the "200 OK" response to the initial registration if "*" is included in the Contact header field of the REGISTER request in step 1 (NOTE)

	
expires
	0

	NOTE:
According to 3GPP TS 24.229 [10] clause 5.4.1.4.1 when the S-CSCF gets a wild-carded contact address for de-registration it shall include all de-registered contact addresses in the contact header of the 200 OK response ( there is no “*” in DL.


C.31
Generic test procedure for MT release of IMS call
The generic test procedure:
1) SS sends BYE to the UE.

2) SS expects and receives 200 OK for BYE from the UE.
3)-4) Deactivation of an indicated EPS Bearer .
Steps 3 and 4 are applicable for a UE with E-UTRA support (TS 34.229-2 A.18/1) only.
Expected sequence

	Step
	Direction
	Message/Procedure
	Comment

	
	UE
	SS
	
	

	1
	(
	BYE
	The SS sends BYE to release the call.

	2
	(
	200 OK
	The UE sends 200 OK for the BYE request and ends the call.

	3-4
	
	
	EPS Bearer Deactivation procedure according TS 36.508 [94] subclause 4.5A.15.


Specific message contents

BYE (step 1)

Use the default message "BYE" in annex A.2.8.

200 OK (step 2)

Use the default message "200 OK for other requests than REGISTER or SUBSCRIBE" in annex A.3.1.
C.32
Generic test procedure for MO release of IMS call
The generic test procedure:
1) SS makes the UE release the IMS call. SS sends AT command CHCCS [123].

2) Call is released on the UE. SS waits the UE to send a BYE request.

3) SS responds to the BYE request with valid 200 OK response.
4)-5) Deactivation of an indicated EPS Bearer.
Steps 4 and 5 are applicable for a UE with E-UTRA support (TS 34.229-2 A.18/1) only.

Expected sequence

	Step
	Direction
	Message/Procedure
	Comment

	
	UE
	SS
	
	

	1
	
	
	Make the UE release the IMS call 

	2
	(
	BYE
	The UE releases the call with BYE

	3
	(
	200 OK
	The SS sends 200 OK for BYE

	4-5
	
	
	EPS Bearer Deactivation procedure according TS 36.508 [94] subclause 4.5A.15.


Specific message contents

BYE (Step 2)

Use the default message “BYE” in annex A.2.8.

200 OK for BYE (Step 3)

Use the default message “200 OK for other requests than REGISTER or SUBSCRIBE” in annex A.3.1.
Annex D (Informative):
Example values for certain IXIT parameters

<END OF MODIFIED SECTION>
