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During the RAN2#63 meeting in Jeju, RAN2 discussed TB sizes for VoIP [4]

 REF _Ref206974825 \r \h 
[5]. RAN2 would like to ensure that at least codec modes corresponding to AMR-NB {4.75, 5.9, 7.4, 12.2 kbps} and to AMR-WB {6.6, 8.85, 12.65 kbps} are efficiently supported in the TBS tables.
RAN2 has concluded on this set of codec modes for AMR-NB based on TS 28.062 [2] table 7.11.3.1.3-2 with Config-NB-Code=1 and for AMR-WB based on TS 26.103 [1] table 5.7-1 with the active set for configurations 0-5. It is expected that UEs supporting both AMR and AMR-WB will support these modes, which are mandatory for media gateways [3].
RAN2 would thus like to inform RAN1 of the TB sizes corresponding to each of these codec modes:
	NB-AMR
	TB size (bits)
	
	WB-AMR
	TB size (bits)

	4,75 kbps
	176
	
	6.6 kbps
	208

	5,90 kbps
	192
	
	8.85 kbps
	256

	7,40 kbps
	224
	
	12.65 kbps
	328

	12,2 kbps
	320
	
	

	SID
	144
	
	


The TB sizes for each codec mode are calculated based on the corresponding number of speech frame bits as RTP payload using the bandwidth-efficient payload format for AMR with 3 octets of ROHC header, 3 octets for MAC/RLC/PDCP headers and 2 additional octets to handle small variations in ROHC header size and/or L2 header size (e.g. short BSR, PHR). For the SID, 6 octets instead of 3 octets are assumed for the ROHC header to handle the change between RTP SN and RTP TS, which differs from when the speech codec is active; the size of the SID is the same for both NB-AMR and WB-AMR.
2. Actions:

RAN2 kindly ask RAN1 to consider the TB sizes in the table above in its finalization of TBS tables for LTE release 8 specifications, and if possible to make appropriate changes to improve support for VoIP.
3. Date of Next TSG-RAN WG2 Meeting:

TSG-RAN WG2 Meeting #63bis

September 29 - October 3, 2008
Prague, Czech Republic
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