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5.5.2.2.1	SIP BYE from the UE
Table 5.5.2.2.1-1: SIP BYE from the UE
	Derivation Path: TS 24.229 [16], clause A.2.1.4.3, A.2.2.4.3

	Information Element
	Value/remark
	Comment
	Reference
	Condition

	Request-Line
	
	
	RFC 3261 [22]
	

	  Method
	"BYE"
	
	
	

	  Request-URI
	same URI as the SS has sent earlier in the Contact header of a message within the same dialog
	Contact URI of the recipient of the BYE
	
	

	  SIP-Version
	"SIP/2.0"
	
	
	

	Via
	
	
	RFC 3261 [22]
	

	  sent-protocol
	"SIP/2.0/UDP"
	
	
	UDP

	
	"SIP/2.0/TCP"
	
	
	TCP

	  sent-by
	same value as in INVITE message
	
	
	MO_CALL

	  sent-by
	
	
	
	MT_CALL

	    host
	IP address or FQDN
	Either the UE’s IP address or its home domain name
	
	

	    port
	protected server port of the UE
	as assigned during registration
	
	

	  via-branch
	Value starting with 'z9hG4bK'
	
	
	

	Route
	
	
	RFC 3261 [22]
	

	  route-param list
	URIs of the Record-Route header sent to the UE in the response which has established the dialog, in reverse order
	
	
	MO_CALL

	
	URIs of the Record-Route header sent to the UE in the INVITE
	
	
	MT_CALL

	From
	
	
	RFC 3261 [22]
	

	  addr-spec
	Same URI of the UE as used earlier in the dialog
	Local URI of the dialog (from the UE's point of view)
	
	

	  tag
	Same tag of the UE as used earlier in the dialog
	Local tag of the dialog ID (from the UE's point of view)
	
	

	To
	
	
	RFC 3261 [22]
	

	  addr-spec
	Same URI of the SS as used earlier in the dialogURI
	Remote URI of the dialog (from the UE's point of view)
	
	

	  tag
	Same tag of the SS as used earlier in the dialog
	Remote tag of the dialog ID (from the UE's point of view)
	
	

	Call-ID
	
	
	RFC 3261 [22]
	

	  callid
	same value as in INVITE message
	
	
	

	CSeq
	
	
	RFC 3261 [22]
	

	  value
	value of CSeq sent by the endpoint within its previous request in the same dialog but increased by one
	
	
	

	  method
	"BYE"
	
	
	

	Require
	
	
	RFC 3261 [22]
RFC 3329 [53]
	

	  option-tag
	"sec-agree"
	
	
	

	Proxy-Require
	
	
	RFC 3261 [22]
RFC 3329 [53]
	

	  option-tag
	"sec-agree"
	
	
	

	Security-Verify
	
	
	RFC 3329 [53]
	

	  sec-mechanism
	same value as Security -Server header sent by SS during registration
	
	
	

	Max-Forwards
	
	
	RFC 3261[22]
	

	  value
	any allowed value
	Non-zero value
	
	

	P-Access-Network-Info
	
	
	RFC 7315 [52]
RFC 7913 [51]
	

	  access-net-spec
	Access network technology and, if applicable, the cell ID
	
	
	

	Content-Length
	if present
	
	RFC 3261 [22]
	

	  value
	"0"
	No message body included
	
	



5.5.2.2.2	SIP BYE from the SS
Table 5.5.2.2.2-1: SIP BYE from the SS
	Derivation Path: TS 24.229 [16], clause A.2.1.4.3, A.2.2.4.3

	Information Element
	Value/remark
	Comment
	Reference
	Condition

	Request-Line
	
	
	RFC 3261 [22]
	

	  Method
	"BYE"
	
	
	

	  Request-URI
	same URI as the UE has sent earlier in the Contact header of a response within the same dialog
	Contact URI of the UE ("callee")
	
	

	  SIP-Version
	"SIP/2.0"
	
	
	

	Via
	same as specified for INVITE sent by the SS in Table 5.5.2.5.2- 
	
	RFC 3261 [22]
	MO_CALL

	Via
	same as in INVITE but with updated via-branches
	
	RFC 3261 [22]
	MT_CALL

	Route
	Not present
	
	RFC 3261 [22]
	

	From
	
	
	RFC 3261 [22]
	

	  addr-spec
	Same URI of the SS as used earlier in the dialog
	Remote URI of the dialog (from the UE's point of view)
	
	

	  tag
	Same tag of the SS as used earlier in the dialog
	Remote tag of the dialog (from the UE's point of view)
	
	

	To
	
	
	RFC 3261 [22]
	

	  addr-spec
	Same URI of the UE as used earlier in the dialog
	Local URI of the dialog (from the UE's point of view)
	
	

	  tag
	Same tag of the UE as used earlier in the dialog
	Local tag of the dialog (from the UE's point of view)
	
	

	Call-ID
	
	
	RFC 3261 [22]
	

	  callid
	same value as in INVITE message
	
	
	

	CSeq
	
	
	RFC 3261 [22]
	

	  value
	value of CSeq sent by the endpoint within its previous request in the same dialog but increased by one
	
	
	

	  method
	"BYE"
	
	
	

	Max-Forwards
	
	
	RFC 3261[22]
	

	  value
	"68"
	The recommended initial value is 70 in RFC 3261.
Assuming 2 hops as according to the Via header this results in a value of 68 in the message sent to the UE
	
	

	P-Asserted-Identity
	
	
	RFC 3325 [32]
	

	  addr-spec
	
	
	
	

	    user-info and host
	tsc_MCPTT_PublicServiceId_A
	The URI of the SS
	
	

	    port
	not present
	
	
	

	Content-Length
	
	
	RFC 3261 [22]
	

	  value
	"0"
	No message body included
	
	




