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1. Overview

This document lists TTCN changes needed to correct issues in the ATS ‘iwd-EUTRA-B2013-03_D14wk24’.
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3. Corrections

Change 1 – Correction to function ‘f_IMS_BuildSDP_AnnexC24_Step1’
	Function name
	f_IMS_BuildSDP_AnnexC24_Step1 ()

	Reason for change
	Appendix C.24 is to describe SRVCC media removal. The intention of the re-INVITE request is to remove a previously agreed media session after successful  handover to the target RAT. Therefore, there is no active data (RTCP/RTP) anymore on LTE. 

According to TS 26.114: 

“The bandwidth for RTCP traffic shall be described using the "RS" and "RR" SDP bandwidth modifiers at media level, as specified by RFC 3556”. 

As specified in RFC 3556,

“… where “RS" indicates the RTCP bandwidth allocated to active data senders (as defined by the RTP spec) and "RR" indicates the RTCP bandwidth allocated to other participants in the RTP session (i.e., receivers).”  

And furthermore, as per RFC 3264, section 8.2,

“Existing media streams are removed by creating a new SDP with the port number for that stream set to zero.  The stream description MAY omit all attributes present previously …”.

	Summary of change
	Bandwidth modifiers removed from re-INVITE request. 

	TTCN module
	Common\IMS\IMS_SDP_Messages.ttcn

	MCC160 comments
	


Before:

	…
  //----------------------------------------------------------------------------
  /*
   * @desc      Build SDP record to be sent to the UE at step 1 according to 34.229-1 Annex C.24
   * @return    template (present) SDP_Message
   * @status    APPROVED (LTE_IRAT)
   */
  function f_IMS_BuildSDP_AnnexC24_Step1() runs on IMS_PTC return template (present) SDP_Message
  {
    var charstring v_AddrType := f_IMS_PTC_NW_Address_GetTypeStr();
    var template (present) charstring v_IPAddrOrigin := ?;
    var template (present) charstring v_IPAddrConnection := ?;
    var template (present) SDP_media_desc v_SDP_Media_Desc;
    var template SDP_attribute_list v_SDP_Attribute_List := *;
    var integer v_PortNumber := 0;
    v_SDP_Media_Desc := cr_SDP_Media_Desc(cr_SDP_Media_Audio(-, v_PortNumber),
                                          cr_SDP_Connection(v_AddrType, v_IPAddrConnection),
                                          cr_SDP_Bandwidth_List_Media(?, 0, 0),
                                          v_SDP_Attribute_List);
    return cr_SDP_Message_AnySession(v_AddrType, v_IPAddrOrigin, v_IPAddrConnection, v_SDP_Media_Desc);
  }

…


After:

	…

  //----------------------------------------------------------------------------
  /*
   * @desc      Build SDP record to be sent to the UE at step 1 according to 34.229-1 Annex C.24
   * @return    template (present) SDP_Message
   * @status    APPROVED (LTE_IRAT)
   */
  function f_IMS_BuildSDP_AnnexC24_Step1() runs on IMS_PTC return template (present) SDP_Message
  {
    var charstring v_AddrType := f_IMS_PTC_NW_Address_GetTypeStr();
    var template (present) charstring v_IPAddrOrigin := ?;
    var template (present) charstring v_IPAddrConnection := ?;
    var template (present) SDP_media_desc v_SDP_Media_Desc;
    var template SDP_attribute_list v_SDP_Attribute_List := *;
    var integer v_PortNumber := 0;
    v_SDP_Media_Desc := cr_SDP_Media_Desc(cr_SDP_Media_Audio(-, v_PortNumber),
                                          cr_SDP_Connection(v_AddrType, v_IPAddrConnection),
                                           *,
                                          v_SDP_Attribute_List);
    return cr_SDP_Message_AnySessionNoBw(v_AddrType, v_IPAddrOrigin, v_IPAddrConnection, v_SDP_Media_Desc);
  }
…


Change 2 – Introduction of new template ‘cr_SDP_Message_AnySessionNoBw’
	Function name
	cr_SDP_Message_AnySessionNoBw ()

	Reason for change
	See change 1 above.

	Summary of change
	New template defined. 

	TTCN module
	Common\IMS\IMS_SDP_Templates.ttcn

	MCC160 comments
	


Before:

	


After:

	…

   template (present) SDP_Message cr_SDP_Message_AnySessionNoBw(template (present) charstring p_AddrType := ?,
                                                           template (present) charstring p_IPAddrOrigin := ?,
                                                           template (present) charstring p_IPAddrConnection := ?,
                                                           template (present) SDP_media_desc p_SDP_Media_Desc) :=
  /* @status    APPROVED (IMS, LTE_A, LTE_IRAT) */
    cr_SDP_Message_Common(p_AddrType, p_IPAddrOrigin, p_IPAddrConnection, -, *, cr_SDP_Time_Any, { p_SDP_Media_Desc });
…


