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Attachment:
S1-020614  (= S4 (02)0237) on “Liaison Statement on Interworking of AMR-WB with G.722.1” from SA1.
SA4 thank SA1 for the LS answering to the transcoding requirements for AMR-WB. This response clarifies quite well that no transcoding is required between AMR-WB and other WB speech codecs such as G.722 and G.722.1.

It is furthermore assumed that “G.722.2: no transcoding is needed for interworking since G.722.2 reuses the AMR-WB speech coding algorithm”. This assumption was correct as long as the telephony application which uses AMR-WB standard for speech coding includes all the codec modes that it specifies. Recently SA and GERAN have agreed upon reducing the set of possible ACS (Active Codec Set) configurations for WB telephony services.

This increases the risk of the need for transcoding between G.722.2 and AMR-WB based telephony service in UMTS and GSM networks. This risk is still difficult to evaluate since to our knowledge there’s no WB telephony service in the fix network, based on G.722.2, defined yet.

Actions:

To SA1, SA2, CN4, GERAN

To not discard, yet, in their assumptions the need for transcoding in WB speech telephony services.

