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	Reason for change:
	Currently, the specification refers to outdated version of IETF draft-ietf-clue-datachannel and draft-ietf-mmusic-data-channel-sdpneg.

Changes from the currently referenced version -14 and latest available -18 of draft-ietf-clue-datachannel are:
- Draft Category changed from "Standards Track" to "Experimental".
- ICE reference update.
- Reference draft versions updates.
- Updates based on IESG review.
- Make CLUE references Informative, as they are going to be published as Experimental RFCs. ICE reference update.
- Editorial corrections and clarifications.
These changes do not impact the current text in TS 23.333.

Changes from the currently referenced version -06 and latest available -28 of draft-ietf-mmusic-data-channel-sdpneg are:
- Addition of two new paragraphs to Section 5.2.1 regarding subprotocol attribute relationship with transport protocol.
- Addition of a note to Section 9.1 regarding subprotocols simultaneously defined for data channel and Websocket usage.
- Addition of two further SDP offer/answer considerations to Section 6.7 regarding unknown subprotocol attributes and known subprotocol attributes with unknown data channel transport related semantic.
- Addition of definition of "data channel subprotocol" to Section 3 as proposed on the MMUSIC list, https://www.ietf.org/mail-archive/web/mmusic/current/msg15827.html.
- Addition of RFC4566bis draft to list of normative references.
- Updates of tables in Section 9.2.1 and Section 9.2.2 as per section 8.2.4 of RFC4566bis draft.
- Addition of new "new-usage-level">.
- In the introduction is modified:
- Replacement of "DTLS connection" with "DTLS association" throughout the document.
- In sections Section 5.1.9 and Section 5.2.2 removal of the sentences "This document also does not specify multiplexing rules for this attribute for SCTP or SCTP/DTLS proto values".
- In the text related to "Subsequent SDP answer" in section Section 6.7 replacement of "The DTLS/SCTP association remains open " with "The SCTP association remains open ...".
- In the text after the second SDP answer in section Section 7 replacement of "... (after SCTP/DTLS association is setup)" with "... (after the SCTP association is set up)".
- Addition of draft-ietf-mmusic-dtls-sdp to the list of informative references.
- Addition of "a=dtls-id" attribute lines to the SDP offer/answer added examples in Section 7.
- Removal of the "a=connection" attribute lines from all SDP, added examples.
- Add missing a=dtls-id in one example.
- Use of TEST-NET-1 ip addresses in examples.
- dcmap-stream-id syntax change to limit size to 5 digits.
- Add missing 'x' prefix to quoted-visible syntax.
- Align SDP offerer and answerer handling when both max-retr and max-time are present.
- Change "dtls-id" to "tls-id" and assign 20 octet long values
- Remove of RFC4566bis draft from list of normative references.
- Update security section.
- Specified that in order to communicate with WEbRTC API the label attribute should Serialize the WebRTC label as a UTF-8 string [RFC3629]; Treat the UTF-8 serialization as a series of bytes; For each byte in the serialization: If the byte can be expressed as a `quoted-char`, do so, Otherwise, express the byte as an `escaped-char`.
- Editorial corrections and clarifications.
These changes do not impact the current text in TS 23.333. 

	
	

	Summary of change:
	The version numbers of draft-ietf-clue-datachannel and draft-ietf-mmusic-data-channel-sdpneg are updated to reflect the latest draft versions.

	
	

	Consequences if not approved:
	3GPP specification is not aligned with IETF and will continue to refer to draft versions that are formally not available, leading to potential interoperability problems.
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