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1. Introduction
This paper defines how the hostportion of SIP-URI should be set and used, and the (G)MSC Server Address.

2. Reason for Change

The two issues are marked as FFS.
3. Conclusions

4. Proposal

It is proposed to agree the following changes to 3GPP TS 23.231 v1.1.0.
* * * First Change * * * *

11
Identities


11.1
Telephone numbering schemes

(G)MSC-Servers shall support the receipt of tel-URI and SIP URI (user=phone) and the sending of Tel-URI. The sending of SIP URI (user=phone) may be supported as an option. Both global and local telephone numbering formats shall be supported as per IETF RFC 3966 [10]. When SIP URI (user=phone) is sending in the initial INVITE message, the hostportion should be the SIP signaling address and optionally with the port of the (G)MSC servers which sending or receiving the SIP message as per the SIP URI is for the calling or called party’s. The (G)MSC servers received the SIP message should not check the hostportion of the SIP-URIs.
Editor's Note:  The support of isdn-subaddress is for FFS.


11.2
(G)MSC Server Address
The (G)MSC server Address defines the signalling address associated with the (G)MSC server that is used to interact with the Media Gateway over the Mc interface. This is a unique address in the network service supplier domain.


* * * Next Change * * * *

<Proposed change in revision marks>

* * * Next Change * * * *

<Proposed change in revision marks>

