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1. Introduction
2. Reason for Change
To ensure interoperability between SIP-I based Nc implementations from different vendors, it was agreed during the feasability study to mandate the support of IPv4 on Nc, Mc and Nb interfaces, while keeping the support of IPv6 optional. This agreement was captured in sub-clause 6 of the 3GPP TR 29.802. 
3. Conclusions

Mandate support of IPv4 on Nc interface. IPv6 support is optional.
4. Proposal

It is proposed to agree the following changes to 3GPP TS 29.231 v1.1.0.
* * * First Change * * * *
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4.5
Signalling Transport

4.5.1
Call Control protocols

Table 4.5.1.1: Call Control Signalling Transport

	Identification
	Protocol Name
	
Amendments and Endorsements to referenced specifications
	Support

	IETF RFC 791 [xx]
	Internet Protocol, Version 4 (IPv4)
	See clause 5.x
	Mandatory

	IETF RFC 2460 [yy]
	Internet Protocol, Version 6 (IPv6)"
	See clause 5.y
	Optional

	IETF RFC 2960 [25]
	Stream Control Transmission Protocol
	See clause 5.16
	Mandatory

	IETF RFC 3309 [26]
	Stream Control Transmission Protocol (SCTP) Checksum Change
	See clause 5.17
	Mandatory

	IETF RFC 4168 [27]
	The Stream Control Transmission Protocol (SCTP) as a Transport for the Session Initiation Protocol (SIP)
	See clause 5.18
	Mandatory


* * * Next Change * * * *

5.x
RFC 791 (Internet Protocol, Version 4)

IPv4 (RFC 791 [xx]) shall be supported on the Nc interface. IPv6 (RFC 2460 [yy]) may be supported.

5.y
RFC 2460 (Internet Protocol, Version 6)

See sub-clause 5.x. 
