3GPP TSG CT WG4 Meeting #38bis
C4-080721
Jeju Island, KOREA, 7th – 11th April 2008

Source:
Huawei
Title:
Multimedia call flow for SCP based architecture 

Agenda item:
6.4
Document for:
DISCUSSION & APPROVAL
This paper provides the multimedia call flow for SCP based architecture. It is proposed to update the following text into TR 29.882 v0.3.0.

7.7.3.2
Multimedia call


[image: image1] Figure 7.7.3.2.1: Video Ring back tone provided by CAT server B
1 to 4    As per normal mobile terminating (speech) call scenario with following exception:                                                     - SRI ACK includes a mark, i.e. T-CSI.
Note: T-CSI is included to show that the roaming number is suppressed in the SRI ACK.
5 to 11 
After receive the IDP, the SCP retrieves the MSRN from HLR if the called party has subscribed and activated the CAT service. The CONNECT message sent to GMSC/SSP will include routing information of CAT server, i.e. a prefix added before the MSRN. 
12 to 25 As per the flow from step 8 to the end for the GMSC Server bridge architecture (see sub-section 7.6.3.2) with following exception:                                                                                                  

            - GMSC/SSP connects the CAT server according to the routing information of CAT server sent in CONNECT message.
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