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******* START OF CHANGES *******

7.2.3.2.2.0
Overview

Table 10aa provides a summary of how the header fields within the outgoing INVITE message are populated.

Table 10aa: Interworked contents of the INVITE message

	IAM(
	INVITE(

	Called Party Number 
	Request-URI

To

	Calling Party Number
	P-Asserted-Identity 

	
	Privacy

	
	From

	Generic Number ("additional calling party number")
	From

	
	Privacy

	Hop Counter
	Max-Forwards

	TMR/USI 
	Message Body (application/SDP)

	Location Number
	P-Access-Network-Info


If the O-MGCF needs to create a SIP or SIPS URI when creating the INVITE request, it shall use the domain where the O-MGCF is located as a domain name of the URI.
******* END OF CHANGES *******
