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1. ABSTRACT
This document defines requirements, to be used for the work on video interworking use-case scenarios.
2. REQUIREMENTS
In theory, there are many different ways of establishing video interworking sessions. In order to be able to identify the correct ones to focus on, a set of requirements and assumptions must be agreed upon. This chapter proposes such requirements and assumptions.

Functionality:
REQ#1:

Video (and audio) transcoding shall be avoided in the MGW (transcoding may cause quality impacts, delays etc)
REQ#2:

Only a single video/audio codec shall be used when the session has been established (on the CS side only a single codec per channel is used)
REQ#3:

It shall be possible not to send ISUP CON/ANM towards CS until the IMS user has accepted the call

REQ#4:

200 OK shall not be sent towards IMS until the CS user has accepted the call

REQ#5:

It shall be possible to establish MGCF-to-MGCF sessions (e.g. trunking/transit/etc)
Detection of video call:
REQ#6:

A call from IMS is assumed to be a video interworking call if the SDP offer contains a media description for video (otherwise the call is treated as a normal SIP/ISUP voice call)
REQ#7:

A call from CS is assumed to be a video interworking call if the ISUP USI indicates “multimedia call”, TMR: 64 kbit/s, USI: ITC=UDI, L1p: H.223/H.245
3. PROPOSAL
We propose that the requirements and assumptions described in this document are approved, and that they shall be used for the work in defining video interworking use-case scenarios.

