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1. Overall Description:

CT1 thanks SA4 for the LS S4-140750.

LS S4-140750 states the following

---------------------------------------------------------------------------------

Clause 6.1.3 of TS 24.229 specifies as follows:


Upon sending a SDP answer to an SDP offer (which included one or more media lines which was offered with several codecs) the terminating UE shall select exactly one codec per media line and indicate only the selected codec for the related media stream.

This seems to permit selecting multiple RTP payload formats for one codec per media line. SA4 is specifying that AMR-WB interoperable modes and the new EVS modes form a single codec. Therefore we believe this requirement is met. It is possible that TS 24.229 might need clarification in this respect.

......

To TSG CT WG1
· SA4 would like to ask CT1 to consider whether TS 24.229 clause 6.1.3 needs clarification such that it allows multiple RTP payload formats for one codec per media line.
· SA4 would like CT1 to note that SA4 is under the assumption that handling of DTMF will not require any new mechanisms and can be done as for AMR/AMR-WB + DTMF.
---------------------------------------------------------------------------------

CT1 view is:

24.229 subclause 6.1.1 states:

---------------------------------------------------------------------------------

During the session establishment procedure, and during session modification procedures, SIP messages shall only contain an SDP message body if that is intended to modify the session description, or when the SDP message body is included in the message because of SIP rules described in RFC 3261 [26].
NOTE 1:
A codec can have multiple payload type numbers associated with it.

---------------------------------------------------------------------------------

Thus, 24.229 enables inclusion of multiple RTP payload type numbers for a given m= line in SDP answer. However, all the RTP payload type numbers must be mapped to the same encoding name. For dynamic payload type assignments, the same encoding name must be indicated in all rtpmap attributes of a given m= line in SDP answer.

Thus, 24.229 does not enable inclusion of EVS and AMR-WB in rtpmap attributes of one m= line in SDP answer.
Regarding DTMF, CT1 agrees with SA4’s assumption that handling of DTMF will not require any new mechanisms and can be done as for AMR/AMR-WB + DTMF.
On:
---------------------------------------------------------------------------------
To TSG CT WG1, WG3, WG4 and SA2:
· SA4 would like to ask CT1, CT3, CT4 and SA2 to identify and perform required updates to their respective specifications to make sure that VoLTE speech service using the EVS codec will be enabled by all relevant 3GPP specifications in the Rel-12 time frame. See more details in section 1 of this LS.
· SA4 would like to ask CT1, CT3, CT4 and SA2 if there are other possible impacts than those listed in this LS.
---------------------------------------------------------------------------------

CT1 agreed the attached WID.

2. Actions:

To SA4 group.

ACTION: 
CT1 asks SA4 to take the information above into account.
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