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	Other comments:
	


***** First change *****
12.2.3
Not based on ICS

After successful PS to CS SRVCC procedures (as described in 3GPP TS 24.008 [8]) have been completed, if the SC UE is not using ICS capabilities and the SC UE does not apply the MSC Server assisted mid-call feature as specified in subclause 12.2.3A, the SC UE shall replace the ongoing session with active speech media component which was made active most recently with the newly established CS voice call.

NOTE 1: 
In the case when ICS is not supported or used and the SC UE does not apply the MSC Server assisted mid-call feature, only the ongoing session with active speech media component which was made active most recently is transferred from PS to CS audio.

If the Gm reference point is:

1)
retained upon successful PS handover completion;

NOTE 2: 
The SC UE knows that the Gm reference point is retained upon PS handover if, following handover, the SC UE has a dedicated PDP context for SIP signalling or has a general-purpose PDP context to carry the IM CN subsystem-related signalling, as described in 3GPP TS 24.229 [2] annex B.2.2.1.

a)
and there are one or more remaining: 
i)
non-speech media component(s) in the IMS session other than the speech media component which were transferred to the CS Target Access Leg; or

ii)
media component(s) in the IMS session other than the speech media component which were transferred to the CS Target Access Leg and the SC_non_transferrable_media node value in the Communication Continuity MO (see subclause 5.27 in 3GPP TS 24.216 [5]) is:

1)
configured and is set to "drop"; or

2)
not configured; 
the SC UE shall:

-
send a SIP re-INVITE request to the SCC AS as specified for media removal in subclause 13.2.1; and

-
indicate in the SDP offer the speech media component as removed.

b)
and there are no more non-speech media component(s) remaining in the IMS session other than the speech media component which was transferred to the CS Target Access Leg; the SC UE shall either:

i)
send a SIP re-INVITE request to the SCC AS as specified for media removal in subclause 13.2.1 indicating in the SDP offer the speech media component as removed;

ii)
wait for a period of time for a SIP BYE request to be received before clearing the SIP dialog state internally; or

iii)
clear the SIP dialog state internally; or

2)
not retained upon successful PS handover completion the SC UE shall clear the SIP dialog state internally.

NOTE 3: 
If a SIP BYE request is received after the UE has cleared the SIP dialog state internally the UE will send a SIP 481 Call/Transaction Does Not Exist response according to RFC 3261 [19].
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