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1. Introduction

This document further updates the description of media multiplexing and proposes to kick RTP streams multiplexing out of the scope in release 12 TR 24.803.
2. Reason for Change

According to subclause 4.5 of the IETF draft-kyzivat-clue-signaling-07 (copied as below), it is mentioned that multiplexing multiple RTP streams in a CLUE session has still not yet been determined. The IETF CLUE group is waiting for the progress in the other relevant WGs, like MMUSIC.
   There is a desire in many use-cases to be able to multiplex multiple

   RTP streams onto a single port.  However, the syntax for doing this

   in a CLUE or a generic MMUSIC fashion has not yet been determined.

   Because there will always also be a need for non-multiplexed
   operation, the decision was made to move forward with non-multiplexed
   syntax, and add multiplexing capabilities when syntax for that has 
   been defined.
Based on the current situation, the IETF CLUE group and the signalling draft made the decision to move forward with non-multiplexed syntax at this stage.

Given the time line of 3GPP release 12, it is proposed to not consider RTP streams multiplexing in this release of TR 24.803. However, the further adoption on this will depend on the progress in future.
3. Conclusions

The changes in this contribution are proposed to be incorporated in the new TR.
4. Proposal

It is proposed to agree the following changes to 3GPP TR 24.803 v1.1.0.
* * * First Change * * * *
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5.8.6
Media multiplexing for multiple streams

5.8.6.1
Options
There are different levels of media multiplexing for multiple streams in scope, including:

1)
RTP and RTCP multiplexing: multiplexing RTP data packets and RTP Control Protocol (RTCP) packets on a single UDP port as specified in IETF RFC 5761 [14], may be chosen for IM session supporting telepresence to ease Network Address Translation (NAT) traversal and simplify firewall administration;
2)
Bearer transport with multiplexing: transporting several RTP payload PDUs of different user plane connections within one packet as an optional transport format for the Nb interface, as specified in 3GPP TS 29.414 [13] and not further described in the document; and
3)
RTP streams multiplexing: transporting multiple RTP streams over a single UDP flow, and is not adopted in the IETF CLUE protocol at this stage according to draft-kyzivat-clue-signaling [xy].

5.8.6.2
Conclusion
Media multiplexing is not addressed in the release 12 of TR 24.803. The further adoption of media multiplexing in IM session support telepresence should be based on the evolution of IETF CLUE work.
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