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------------------------------------------- 1st change----------------------------------------------
A.4.X
Call origination with CS to PS SRVCC

The signalling flow shown in figure A.4.X-1 gives an example of originating session set up. The ATCF anchors the media of the session. 
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For clarity, the SIP 100 (Trying) responses are not shown in the signalling flow.
Figure A.4.X-1
Signalling flows for service continuity using CS to PS SRVCC.

1.
SC UE A registers in IMS

The SC UE A registers in IMS.

2.
The SC UE A performs a CS attach and the MSC server registers in IMS.

3.
CC SETUP message (SC UE A to MSC server).
The SC UE sends a CC SETUP message according to 3GPP TS 24.008 [8].

4.
SIP INVITE request (MSC server to ATCF) - see example in table A.4.X-4 
The MSC server enhanced for ICS sends the SIP INVITE request towards the ATCF.
Table A.4.X-4: SIP INVITE request (MSC server to ATC)
INVITE tel:+1-212-555-2222 SIP/2.0

Via: SIP/2.0/UDP [5555::aaa:bbb:ccc:ddd]:1357;branch=z9hG4bKnashds7

Max-Forwards: 70

Route: <sip:msc1.visited2.net:7531;lr;<sip:orig@scscf1.home1.net;lr>
P-Asserted-Identity: tel:+1-212-555-1111
Privacy: none

From: <tel:+1-212-555-1111>;tag=171828

To: <tel:+1-212-555-2222>

P-Access-Network-Info: 3GPP-UTRAN-TDD; utran-cell-id-3gpp=234151D0FCE11

P-Visited-Network-ID: "Visited Network Number 1 for MSC Server"

Call-ID: cb03a0s09a2sdfglkj490333 

Cseq: 127 INVITE

Supported: precondition, 100rel
Contact: <sip:user1_public1@home1.net;;+g.3gpp.icsi-ref="urn%3Aurn-7%3gpp-service.ims.icsi.mmtel";
Accept-Contact: *;+g.3gpp.icsi-ref="urn%3Aurn-7%3gpp-service.ims.icsi.mmtel"

Allow: INVITE, ACK, CANCEL, BYE, PRACK, UPDATE, REFER, MESSAGE

Content-Type: application/sdp 

Content-Length: (…)

v=0

o=- 2987933615 2987933615 IN IP6 5555::aaa:bbb:ccc:ddd

s=-

c=IN IP6 5555::aaa:bbb:ccc:ddd 

t=0 0

m=audio 3456 RTP/AVP 97 96

b=AS:25.4

a=curr:qos local sendrecv

a=curr:qos remote none

a=des:qos mandatory local sendrecv

a=des:qos none remote sendrecv

a=rtpmap:97 AMR 

a=fmtp:97 mode-set=0,2,5,7; maxframes=2

a=rtpmap:96 telephone-event 

Route:
ATCF URI, this is the resolved STN-SR. provided by SCC AS during registration.
5.
Reserve ATGW resources

The ATCF reserves resources in the ATGW.

6-10.
SIP INVITE request (ATCF to I-CSCF) - see example in table A.4.X-6 

Table A.4.X-6: SIP INVITE request (ATCF to I-CSCF)
INVITE tel:+1-212-555-2222 SIP/2.0

Record-Route: <sip:atcf.visited2.net;lr>

Via: SIP/2.0/UDP actf.visited2.net:5060;branch=z9hG4bKnas55889, SIP/2.0/UDP [5555::aaa:bbb:ccc:ddd]:1357;;branch=z9hG4bKnashds7

Max-Forwards: 69

Route: <sip:orig@scscf1.home1.net;lr>

P-Asserted-Identity: 

P-Access-Network-Info: 

Privacy: 

From: 

To: 

Call-ID: 

Cseq: 

Require: 

Supported: 

Proxy-Require: 

Contact: 

Accept-Contact

Allow: 

Content-Type: 

Content-Length: 

v=0

o=- 22 333 IN IP6 8888::111:222:333:444

s=-

c=IN IP6 8888::111:222:333:444
t=0 0

m=audio 8899 RTP/AVP 97 96

b=AS:25.4

a=curr:qos local sendrecv

a=curr:qos remote none

a=des:qos mandatory local sendrecv

a=des:qos none remote sendrecv

a=rtpmap:97 AMR 

a=fmtp:97 mode-set=0,2,5,7; maxframes=2

a=rtpmap:96 telephone-event 


SDP offer:
the IP address and ports are updated to contain the values provided by ATGW.

11-12. SIP 183 (Session Progress) response (remote UE B towards SCC AS)

The remote UE responds with SIP 183 (Session progress) response.

13-15. SIP 183 (Session Progress) response (SCC AS towards ATCF) - see example in table A.4.X-13

Table A.4.X-13: SIP 183 (Session Progress) response (SCC AS towards ATCF)
SIP/2.0 183 Session Progress

Record-Route: <sip:atcf.visited.net;lr>,<sip:icscf.home1.net;lr>,<sip:scscf.home1.net;lr>, <sip:sccas.home1.net;lr>;
Via: SIP/2.0/UDP sccas.home1.net:5060;branch=z9hG4bKnas522, SIP/2.0/UDP scscf.home1.net:5060;branch=z9hG4bKnas889, SIP/2.0/UDP icscf.home1.net:5060;branch=z9hG4bKnas225, SIP/2.0/UDP actf.visited2.net:5060;branch=z9hG4bKnas55889, SIP/2.0/UDP [5555::aaa:bbb:ccc:ddd]:1357;branch=z9hG4bKnashds7

Max-Forwards: 60

P-Asserted-Identity: <tel:+1-212-555-2222>

Privacy: 

From: 
To: <tel:+1-212-555-2222>; tag=aaa

Call-ID: 

Cseq: 

Require: 

Supported: 

Contact: <sip:user2_public1@home2.net;gr=urn:uuid:2ad8950e-48a5-4a74-8d99-ad76cc7fc74>;+g.3gpp.icsi-ref="urn%3Aurn-7%3gpp-service.ims.icsi.mmtel"

Allow: 

Content-Type: 

Content-Length: 

v=0

o=- 462346 5654 IN IP6 1234::55:66:77:88

s=-

c=IN IP6 1234::55:66:77:88
t=0 0

m=audio 4456 RTP/AVP 97 96

b=AS:25.4

a=curr:qos local none

a=curr:qos remote sendrecv

a=des:qos mandatory local sendrecv

a=des:qos mandatory remote sendrecv

a=rtpmap:97 AMR 

a=fmtp:97 mode-set=0,2,5,7; maxframes=2

a=rtpmap:96 telephone-event 

16. Configure ATGW resources.

The ATCF configures the resources of ATGW.
17. SIP 183 (Session Progress) response (ATCF to MSC server) - see example in table A.4.X-17

Table A.4.X-17: SIP 183 (Session Progress) response (ATCF to MSC server)
SIP/2.0 183 Session Progress

Record-Route: <sip:atcf.visited.net;lr>, <sip:scscf.home1.net;lr>, <sip:icscf.home1.net;lr>, <sip:sccas.home1.net;lr>

Via: SIP/2.0/UDP [5555::aaa:bbb:ccc:ddd]:1357;

Max-Forwards: 60

P-Asserted-Identity: <tel:+1-212-555-2222>

Privacy: 

From: 

To: 

Call-ID: 

Cseq: 

Require: 

Supported: 

Contact: <sip:user2_public1@home2.net;gr=urn:uuid:2ad8950e-48a5-4a74-8d99-ad76cc7fc74>;+g.3gpp.icsi-ref="urn%3Aurn-7%3gpp-service.ims.icsi.mmtel"

Allow: 

Content-Type: 

Content-Length: 

v=0

o=- 44 555 IN IP6 8888::111:222:333:444

s=-

c=IN IP6 8888::111:222:333:444
t=0 0

m=audio 11234 RTP/AVP 97 96

b=AS:25.4

a=curr:qos local none

a=curr:qos remote sendrecv

a=des:qos mandatory local sendrecv

a=des:qos mandatory remote sendrecv

a=rtpmap:97 AMR 

a=fmtp:97 mode-set=0,2,5,7; maxframes=2

a=rtpmap:96 telephone-event 


SDP answer:
the IP address and ports are updated to contain the values provided by ATGW.
18. CC CALL CONFIRM message (MSC server to SC UE A)

Regular call setup continues. 
----------------------------------------- End changes---------------------------------------------
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