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	Reason for change:
(
	23.237, subclause 6.3.2.1.9.1, bullet 6 state:

6.
After receiving the Access Transfer message, the ATCF re-establishes the communication with the SCC AS and updates the SCC AS that the transfer has taken place by sending an Access Transfer Update message to the SCC AS using the stored ATU-STI. If the MSC server indicated it supported mid-call feature, it also indicates this in the message to the SCC AS. The Access Transfer Update creates a new dialogue between the ATCF and SCC AS. The SCC AS correlates the new dialog with the remote dialog (e.g., using the C-MSISDN). As there is no update in the session description, no remote end update will be performed. 

However, in 24.237 10.1.0, subclause 12.3.5 the SCC AS only relies on the dialog correlation done by ATCF. 
If ATCF provides incorrect dialog identifier in Target-Dialog header field:

- incorrect session would be transferred by SCC AS;
- SC UE will assign transaction identifiers to incorrect sessions (SC UE selection of the session transferred by SRVCC access transfer is aligned with SCC AS selection);
- MSC server assisted mid-call feature and alerting SRVCC (when active and alerting calls exist) would not work.
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	SCC AS determines the session being transferred. If dialog identifier in the Target-Dialog header field of the INVITE due to ATU-STI  identifies the session being transferred the SCC AS handles the INVITE due to ATU-STI as the INVITE due to STN-SR with exception that remote leg is not updated. 
As handling of INVITE due to STN-SR includes execution of the MSC Server assisted mid-call feature and alerting SRVCC (when active and alerting calls exist) when applicable, those features are executed too.
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12.3.5
SCC AS procedures for PS to CS access transfer: SRVCC enhancement using ATCF

The SCC AS needs to distinguish the following initial SIP request:

-
SIP INVITE requests routed to the SCC AS due to ATU-STI in the Request-URI. In the procedures below, such requests are known as "SIP INVITE requests due to ATU-STI".
Upon receiving the SIP INVITE request due to ATU-STI, the SCC AS shall:

1)
if there is a Target-Dialog header field in the SIP INVITE request due to ATU-STI:
A)
determine transferable session set which are all the SRVCC transferable sessions of the SC UE whose private user identity is associated with Correlation MSISDN equal to the URI in the P-Asserted-Identity header field of the SIP INVITE requests due to ATU-STI;
B)
determine the session being transferred which is a session:
a)
in the transferable session set;

b)
is confirmed dialog; and

c)
with active audio media which has been made active most recently; and
C)
if the session being transferred was determined and is the same as the dialog identifier in the Target-Dialog header field in the SIP INVITE request due to ATU-STI, then perform the procedures described for SIP INVITE request due to STN-SR in subclause 12.3.1 with the following differences:

a)
if the SDP offer in the SIP INVITE request due to ATU-STI is the same as the SDP negotiated by the ATCF in the session being transferred:
i)
do not send SIP re-INVITE request towards remote UE; and
ii)
send a SIP 200 (OK) response to the SIP INVITE request due to ATU-STI containing the SDP negotiated by SCC AS towards ATCF in the session being transferred; 

NOTE:
handling when no session being transferred is determined or when the dialog identifier in the Target-Dialog header field in the SIP INVITE request due to ATU-STI identifies a dialog other than the session being transferred is out of scope of this release of this document.
2)
if there is no Target-Dialog header field in the SIP INVITE request:

a)
perform the procedures described for SIP INVITE requests due to STN-SR in subclause 12.3.1.
Editor's note [eSRVCC]: whether the ATU-STI is static or dynamic needs FFS.


