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**** START CHANGE 2 ****
9.2.1B
SC UE procedures for PS to CS access transfer with MSC server assisted mid-call feature for speech and video session
When PS to CS access transfer occurs, with a speech and video session and another voice session using PS media in the SC UE, either the speech and video session or the voice session may be hold by the user. 

The SC UE applies the MSC Server assisted mid-call feature according to the procedures described in subclause 9.2.1A with the following additions:  
-
if the SC UE and the CS network support SCUDIF feature, and the speech and video session is active and voice session is inactive the SC UE shall transfer the active speech and video session as specified in subclause 9.2.1, and indicate the support of SCUDIF in the SETUP message as specified in TS 24.008 [8], with multimedia bearer capability preferred for the current active session; and
-
if the SC UE and the CS network support SCUDIF feature, and the speech and video session is inactive and voice session is active, the SC UE shall transfer the voice session as specified in subclause 9.2.1, and indicate the support of SCUDIF in the SETUP message as specified in TS 24.008 [8], with speech bearer capability preferred for the current active session.
After successful transfer of the speech and video session and another voice session from PS to CS, the UE can switch between the speech and video session and the voice session, using the following procedures:

1.
if the SC UE and the CS network support SCUDIF feature, the SC UE shall initiate an in-call modification procedure by sending a Modify message towards the MSC Server enhanced for ICS to change the bearer capability for the session being retrieved, after sending the Hold/Release message for the active session and Retrieve message for the inactive session, as specified in TS 24.008 [8]; and
2.
if the SC UE or the CS network does not support SCUDIF feature, the SC UE shall:

-
if the speech and video session is to be held/released and the voice session to be retrieved, send a Modify message towards the MSC Server enhanced for ICS to initate H.245 negotiation to close the video channel as specified in TS 29.163 [X] and use the speech channel for the voice session being retrieved, after sending HOLD/Release message for the active speech and video session and Retrieve message for the inactive voice session as specified in TS 24.008 [8]; and
-
if the voice session is to be held/released and the speech and video session to be retrieved, send a Disconnect message to release the CS leg of the voice session and send a Setup message with the Redial information element to switch the CS leg from speech to multimedia, after sending HOLD/Release message for the voice session and Retrieve message for the speech and voice session, as specified in TS 24.008 [8].
**** END CHANGE 2 ****

**** START CHANGE 3 ****
9.4.1A
MSC Server enhanced for ICS procedures for PS to CS session continuity with MSC server assisted mid-call feature for speech and video session
If the MSC Server enhanced for ICS supports the MSC Server assisted mid-call feature, upon receiving the session state information which indicates an inactive speech and video session, the MSC Server enhanced for ICS shall send a SIP INVITE request for the additional inactive speech and video session as described in subclause 9.4.1A, with the following exceptions: 

-
if due to some reason (i.e. the current RAN type not supporting video, lack of resource, etc.) the video media can not be supported in CS network for the speech and video session, then the MSC Server shall set the port to zero in the “m=” line for the video media in the SDP offer of the SIP INVITE request for the additional inactive session, so as to inform the SCC AS that the video media is deleted and only the audio media of the speech and video session is transfered to CS.

After successful transfer of a speech and video session and a voice session from PS to CS, if messages are received from the UE to switch between the two sessions (i.e. HOLD/Release message to hold/release the active session and Retrieve message to retrieve the inactive session), the MSC Server enhanced for ICS shall perform the procedures as specified in TS 29.163 [X], with the following additions before sending a SIP Resume message for the session being retrieved to the SCC AS:
-
if a Modify messge is received from the UE and support of SCUDIF has been indicated in the received Setup messages during the PS to CS access transfer, the MSC Server enhanced for ICS shall complete the in-call modification procedures to change the bearer capability of the CS leg accordingly for the session being retrieved (speech and video session, or speech session) as specified in TS 24.008 [8];

-
if a Modify messge is received from the UE with speech bearer capability and support of SCUDIF was not indicated in the received Setup messages during the PS to CS access transfer, the MSC Server enhanced for ICS complete the H.245 negotiation procedures to close the video channel of the CS leg for the speech session being retrieved as specified in TS 24.008 [8]; and
-
if a CS Disconnect message and subsequently a Setup message with the Redial information element are received from the UE, the MSC Server enhanced for ICS complete the redial procedures with the UE to switch the CS leg from speech to multimedia for the speech and video session being retrieved as specified in TS 24.008 [8].
**** END CHANGE 3 ****
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