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7.2
SC UE

The SC UE shall support origination of multimedia sessions in the IM CN subsystem as specified in 3GPP TS 24.229 [2]. If the SC UE supports the MSC server assisted mid-call feature, the SC UE shall include the media feature tag g.3gpp.mid-call as described in annex C in the Contact header field of the SIP INVITE request.
The SCC UE shall support origination of calls in the CS domain as specified in 3GPP TS 24.008 [8].

The procedures for call origination where the SC UE is initiating calls using CS media are identical to that for ICS UE specified in 3GPP TS 24.292 [4].
Upon receiving a SIP 2xx response for the SIP INVITE request, if the SC UE supports the MSC server assisted mid-call feature, then the SC UE shall proceed as specified in subclause 8A.2.
****************** change 3 ******************

8.2
SC UE

The SC UE shall support termination of multimedia sessions in the IM CN subsystem as specified in 3GPP TS 24.229 [2]and in 3GPP TS 24.292 [4]. If the SC UE supports the MSC server assisted mid-call feature, and the receiving SIP INVITE request includes media feature tag g.3gpp.mid-call as described in annex C in the Contact header field, the SC UE shall include the media feature tag g.3gpp.mid-call as described in annex C in the Contact header field of the SIP 2xx response to the SIP INVITE request.
The SC UE shall support termination of calls in the CS domain as specified in 3GPP TS 24.008 [8].

The procedures for call termination where the SC UE is receiving calls using CS media are identical to that for ICS UE roles for call termination procedures which are specified in 3GPP TS 24.292 [4]. 
Upon receiving a SIP INVITE request, if the SC UE supports the MSC server assisted mid-call feature, then the SC UE shall proceed as specified in subclause 8A.2.
****************** change 4 ******************

9.2.3
SC UE procedures for CS to PS access transfer with MSC server assisted mid-call feature

Upon receiving a SIP 2xx response for the SIP INVITE request, if the SC UE supports the MSC server assisted mid-call feature, then the SC UE shall proceed as specified in subclause 8A.2.
****************** change 5 ******************

8A
Roles for obtaining conference participants

8A.1
Introduction
This clause specifies the procedures for SC UE and SCC AS obtaining synchronized information on the conference session participants. 
Procedures are specified for the SC UE, for the SCC AS and the common SC UE and SCC AS procedures evaluating the stored conference information.
8A.2
SC UE

If 

1.
the SC UE supports the MSC server assisted mid-call feature;

2.
the media feature tag g.3gpp.mid-call as described in annex C is included in the Contact header field provided the remote UE; and

3.
the 'isfocus' feature tag as described in IETF RFC 3840 [x3840] is included in the Contact header field provided by the remote UE;
then the SC UE shall subscribe to the conference event package as specified in 3GPP TS 24.292 [4] and IETF RFC 4575 [y4575].
8A.3
SCC AS

8A.3.1
Distinction of requests sent to the SCC AS
The SCC AS needs to distinguish between the following initial SIP SUBSCRIBE requests to provide specific functionality relating to call termination:

-
SIP SUBSCRIBE requests with Event header field containing "conference" routed to the SCC AS over the ISC interface as a result of processing filter criteria at the S-CSCF according to the originating procedures as specified in 3GPP TS 24.229 [2], and therefore distinguished by the URI relating to this particular filter criteria appearing in the topmost entry in the Route header. In the procedures below, such requests are known as "SIP SUBSCRIBE requests to conference event package". 

-
SIP NOTIFY requests with Event header field containing "conference" sent by remote UE within a dialog created by a SIP SUBSCRIBE request to conference event package. In the procedures below, such requests are known as "SIP NOTIFY requests for conference event package". 

Other SIP initial requests for a dialog, and requests for a SIP standalone transaction can be dealt with in any manner conformant with 3GPP TS 24.229 [2].

8A.3.2
Subscription related procedures in the SCC AS

When the SCC AS receives a SIP SUBSCRIBE request to conference event package, the SCC AS shall 

1.
if a SCC AS anchors a session

A.
where P-Asserted-Identity header field of the served SC UE used at the establishment of the session is the same as the P-Asserted-Identity header field of the SIP SUBSCRIBE request;

B.
where Contact or P-Asserted-Identity header field of the remote UE used at the establishment of the session is the same as the Request-URI of the SIP SUBSCRIBE request; and
C.
with the 'isfocus' feature tag as described in IETF RFC 3840 [x3840] included in the Contact header field provided by the remote UE at the session establishment;


then insert a Record-Route header field with SCC AS own address; and

2.
forward the SIP SUBSCRIBE request in any manner conformant with 3GPP TS 24.229 [2].

The SCC AS shall forward the SIP response to the SIP SUBSCRIBE request in any manner conformant with 3GPP TS 24.229 [2].
8A.3.3
Notification related procedures in the SCC AS

When the SCC AS receives a SIP NOTIFY request for conference event package, the SCC AS shall forward the SIP NOTIFY request in any manner conformant with 3GPP TS 24.229 [2].

When the SCC AS receives a SIP 2xx response to the SIP NOTIFY request for conference event package, the SCC AS shall 

2.
update the stored conference information based on the SIP NOTIFY request content as specified in IETF RFC 4575 [y4575]; and

3.
forward the SIP 2xx response in any manner conformant with 3GPP TS 24.229 [2].
8A.4
Common SC UE and SCC AS handling

8A.4.1
Stored conference information evaluation

When PS to CS access transfer takes place, both SC UE and SCC AS shall determine the applicable conference participants from the stored conference information as follows:
1.
extract at maximum first 5 conference participants listed in the <user> elements 

a.
included in <users> parent element included in <conference-info> root element of the conference information received within the subscription created in subclause 8a.2; and

b.
containing at least one <endpoint> child element with <status> child element containing one of the states "connected", "on-hold", "muted-via-focus", "pending", "alerting", "dialing-in" or "dialing-out".
