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1. Overall Description:

CT1 kindly thanks TISPAN WG3 for their liaison statement on empty SIP INVITE. 

CT1 discussed the liaison statement and came up with the following comments and issues:

· there are already applications that do not send SDP in the initial INVITE, especially a 3rd Party Call Control server (not a end users device) can make use of this mechanism. A UE receiving empty INVITEs would then need to find out by other means, why such an INVITE was sent in order to e.g. start the appropriate local application. This could cause complications at the UE.

· the appropriate SIP mechanism to query the capabilities of a remote entity is to send an OPTIONS request prior to sending an INVITE. CT1 assumes that the raised issues in the LS from TISPAN WG3 can be solved by an OPTIONS query prior to the INVITE request.
· the procedures for inclusion of SDP in INVITE in 24.229 are streamlined to the resource reservation requirements of wireless UEs – not including SDP in the first INVITE will delay the resource reservation within certain types of mobile networks. CT1 underwent major work in order to optimize the resource reservation procedures.
· it was also said that a UE should in general be capable to include the full list of capabilities it supports in an initial INVITE. 

2. Actions:

To TISPAN WG3 group.

ACTION: 
CT1 kindly asks TISPAN WG3 to take the above indicated issues into consideration and to come up with further requirements on how to handle IP-TV in INVITE / SDP within IMS.
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