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*******First modified Clause 2*******
2
References

The following documents contain provisions which, through reference in this text, constitute provisions of the present document.

4 References are either specific (identified by date of publication and/or edition number or version number) or non‑specific.

5 For a specific reference, subsequent revisions do not apply.

6 For a non-specific reference, the latest version applies.

Referenced documents which are not found to be publicly available in the expected location might be found at http://docbox.etsi.org/Reference.

[1]
ETSI TS 181 002: "Telecommunications and Internet converged Services and Protocols for Advanced Networking (TISPAN); Multimedia Telephony with PSTN/ISDN simulation services".
[2]
ETSI ES 283 003: "Telecommunications and Internet converged Services and Protocols for Advanced Networking (TISPAN); Endorsement of "IP Multimedia Call Control Protocol based on Session Initiation Protocol (SIP) and Session Description Protocol (SDP) Stage 3 (3GPP  TS 24.229 Release 7, modified)" .
[3]
draft-ietf-sipping-conference-package-12: "A Session Initiation Protocol (SIP) Event Package for Conference State".
[4]
Void.
[5]
Void.
[6]
Void.
[7]
ETSI TS 124 147, Release 7: "Digital cellular telecommunications system (Phase 2+); Universal Mobile Telecommunications System (UMTS); Conferencing using the IP Multimedia (IM) Core Network (CN) subsystem; Stage 3 (3GPP TS 24.147 Release 7)".
[8]
IETF RFC 3891: "The SIP Replaces header".
[9]
ETSI ES 283 027 "Telecommunications and Internet converged Services and Protocols for Advanced Networking (TISPAN); Interworking SIP-ISUP for TISPAN-IMS".
[10]
ETSI TS 129 163: "Digital cellular telecommunications system (Phase 2+); Universal Mobile Telecommunications System (UMTS); Interworking between the IP Multimedia (IM) Core Network (CN) subsystem and Circuit Switched (CS) networks (3GPP TS 29.163 Release 7)".


*******Second modified Clause 4.4*******
4.4
Coding requirements

For coding requirements see TS 124 147 [7], clause 5.

*******Third modified Clause 4.5.2.1*******
4.5.2.1
Actions at the originating UE

4.5.2.1.1 User joining a conference

Procedures according to 3GPP TS 24.147 [9], subclause 5.3.1.4 shall apply.
4.5.2.1.2 User inviting another user to a conference

Procedures according to 3GPP TS 24.147 [9], subclause 5.3.1.5 shall apply with the following additions to subclause 5.3.1.5.3 of 3GPP TS 24.147 [9]:

In order to avoid the establishment of a second communication to the invited user, in case of an active session the UE may additionally include the Replaces header in the header portion of the SIP URI of the Refer-to header of the REFER request. The included Replaces header shall refer to the active dialog that is replaced by the ad-hoc conference. The Replaces header shall comply with RFC 3891 [11].

Note:
In case of an interworking to the PSTN the routing of the INVITE request from the conference focus to the MGCF that handles the Replaces information is not deterministic and the replacement of the active dialog might fail.

Example:
Refer-To: <sip:mgcf1.home1.net?Replaces=cb03a0s09a2sdfglkj490333%3Bto-tag314159%3Bfrom-tag171828; method=INVITE>
4.5.2.1.3
User leaving a conference
Procedures according to 3GPP TS 24.147 [9], subclause 5.3.1.6 shall apply.
4.5.2.1.4
User creating a conference

Procedures according to 3GPP TS 24.147 [9], subclause 5.3.1.3 shall apply.
4.5.2.1.5
Subscription for the conference event package
Procedures according to 3GPP TS 24.147 [9], subclause 5.3.1.2 shall apply.

*******Fourth modified Clause 4.5.2.2*******
4.5.2.2
Actions at the Conferencing AS

4.5.2.2.1 
Conference Focus
Procedures according to 3GPP TS 24.147 [9, subclause 5.3.2 and subclause 6.3.2 shall apply, with the following additions to subclause 5.3.2.5.2 of 3GPP TS 24.147 [9]:

If a Referred-By header is available in the REFER request, the AS shall verify if the provided Referred-By header contains a valid identity of the requesting user. If not, the AS shall replace the Referred-By header with a valid value matching the REFER request’s P-Asserted-Identity.

If no Referred-By header is available in the request, the AS shall add a Referred-By header that matches the REFER request’s P-Asserted-Identity.

The procedures described in subclause 5.3.2.5.4 of 3GPP TS 24.147 [9] shall not apply.
4.5.2.2.2
Conference notification service
In case of the subscription of a conference participant to the conference notification service, procedures according to 3GPP TS 24.147 [9], subclause 5.3.3 shall apply.
*******Fifth modified Clause 4.5.2.8*******
4.5.2.8
Actions at the MGCF

Procedures according to 3GPP TS 24.147 [9, subclause 5.2.4 shall apply. 
Note:
In the case of an interworking a request to a PSTN user to dial into a conference (by means of sending a REFER request to the PSTN user) will result in a 403 Forbidden response from the MGCF.
*******No More Modification in This CR*******

