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1. Overall Description:
CT1 thanks SA4 for their LS on multiparty Real-time Text (RTT) in conference calling (S4-220321/C1-222597).
CT1 provides the answer to the following question:
Question to CT1: SA4 asks CT1 to consider the request from ETSI TC HF and confirm that the preliminary assessment of potentially impacted specifications is correct.
CT1 Answer:
-	CT1 confirms the preliminary assessment (i.e., impact to TS 24.147) described in section 4.6.2 of S4-220102 is correct.
-	As requested in section 4.4 WebRTC of S4-220102, CT1 confirms that TS 24.371 is already updated to support IETF RFC 8865 T.140 Real-Time Text Conversation over WebRTC Data Channels.
-	CT1 confirms that TS 24.229 should be updated to support IETF RFC 9071 RTP-Mixer Formatting of Multiparty Real-Time Text and IETF RFC 8865 T.140 Real-Time Text Conversation over WebRTC Data Channels by profiling SDP-based data channel negotiation and data channel subprotocol specific attributes described in the IETF RFCs above.
-	As user device is expected to have TS 26.114 implemented which allows for WebRTC data channels, TS 26.114 should also be updated to support IETF RFC 8865 T.140 Real-Time Text Conversation over WebRTC Data Channels.
-	Regarding how to coordinate the potential normative work, CT1 thinks a Release-18 work item for supporting multiparty Real-time Text (RTT) in conference calling is needed.

[bookmark: _GoBack]2. Actions:
To SA4 group: 
ACTION: 	CT1 kindly asks SA4 to take the above information into account.

3. Date of Next CT1 Meetings:
CT1#136e	12th - 20th May 2022	electronic meeting
