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	The signalling procedures (clause 6.3.4 and subclauses) for the non-controlling MCVideo function updates were approved in CT#94 (Dec 2021). Subsequently, some corrections were found to be needed for those updates.

	
	

	Summary of change:
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*  *  *  *  *  FIRST CHANGE  *  *  *  *  *
[bookmark: _Toc89788509][bookmark: _Toc20155684][bookmark: _Toc27500839][bookmark: _Toc36048964][bookmark: _Toc45209727][bookmark: _Toc51860552][bookmark: _Toc83392060][bookmark: _Toc11407318][bookmark: _Toc27498623][bookmark: _Toc68262348]6.3.4.2.1	SDP answer generation
When composing the SDP answer according to 3GPP TS 24.229 [4], the non-controlling MCVideo function of an MCVideo group:
1)	for the accepted audio media stream in the received SDP offer:
a)	shall replace set the IP address and port number in the received SDP offer with to the IP address and port number of the non-controlling MCVideo function;
2)	for the accepted video media stream in the received SDP offer:
a)	shall replace set the IP address and port number in the received SDP offer withto the IP address and port number of the non-controlling MCVideo function; and
3)	for the accepted media transmission control entity, if present in the received SDP offer:
a)	shall replace set the IP address and port number in the received SDP offerto with the IP address and port number of the non-controlling MCVideo function; and
b)	shall include 'fmtp' attributes as specified in 3GPP TS 24.581 [5].
[bookmark: _Toc11407320][bookmark: _Toc27498625][bookmark: _Toc68262350]*  *  *  *  *  NEXT CHANGE  *  *  *  *  *
[bookmark: _Toc89788512]6.3.4.2.2.2	Sending a SIP 200 (OK) response
When sending a SIP 200 (OK) response, the non-controlling MCVideo function of an MCVideo group:
1)	shall generate the SIP 200 (OK) response according to rules and procedures of 3GPP TS 24.229 [11];
2)	shall include the Session-Expires header field and start supervising the SIP session according to rules and procedures of IETF RFC 4028 [23], "UAS Behavior". The "refresher" parameter in the Session-Expires header field shall be set to "uac";
3)	shall include the option tag "timer" in a Require header field;
4)	shall include the public service identity of the non-controlling MCVideo function in the P-Asserted-Identity header field;
5)	shall include a SIP URI for the MCVideo session identity in the Contact header field identifying the MCVideo session at the non-controlling MCVideo function;
6) shall include the following in the Contact header field:
a)	the g.3gpp.mcvideo media feature tag; and
b)	the g.3gpp.icsi-ref media feature tag containing the value of "urn:urn-7:3gpp-service.ims.icsi.mcvideo";
7)	shall, based on local policy, include Warning header field(s) received in incoming responses to the SIP INVITE requests that were sent as a result of following the procedures of clause 6.3.4.1.2;
8)	shall include the option tag "tdialog" in a Supported header field according to rules and procedures of IETF RFC 4538 [32];
9)	shall include an application/vnd.3gpp.mcvideo-info+xml MIME body with the <mcvideo-called-party-id> element set to the constituent MCVideo group ID and the <transmission-state> element set to the state of the transmission; and
10)	shall interact with the media plane as specified in 3GPP TS 24.581 [5].
*  *  *  *  *  END CHANGES  *  *  *  *  *

