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* * * Next Change * * * *
[bookmark: _Toc20156010][bookmark: _Toc27501167][bookmark: _Toc36049293]10.2.1.1.1	MONP message transport
In order to participate in a call of an MCPTT group, the MCPTT client:
1)	shall send the MONP message as a UDP message to the multicast IP address of the MCPTT group, on to UDP port 8809, with an IP time-to-live set to 255; and
2)	shall treat UDP messages received on the multicast IP address of the MCPTT group and on port TBD8809 as received MONP messages.
The MONP message is the entire payload of the UDP message.
[bookmark: _Toc20156241][bookmark: _Toc27501398][bookmark: _Toc36049524]* * * Next Change * * * *
11.2.1.1.1	Sending/Receiving a message
In order to participate in a private call, the MCPTT client:
1)	shall send the MONP message as a UDP message to the local IP address of the MCPTT user, on to UDP port 8809, with an IP time-to-live set to 255; and
2)	shall treat UDP messages received on the port TBD8809	 as received MONP messages.
NOTE:	An MCPTT client that supports IPv6 shall listen to the IPv6 addresses.
* * * Next Change * * * *
15.1.x	MCVIDEO MESSAGE CARRIER message
15.1.x.1	Message definition
This message is used to carry an MCVIDEO message.
For contents of the message see Table 15.1.21.1-1.
Message type:	MCVIDEO MESSAGE CARRIER
Direction:		UE to other UEs
Table 15.1.21.1-1: MCVIDEO MESSAGE CARRIER message content
	IEI
	Information Element
	Type/Reference
	Presence
	Format
	Length

	
	MCVIDEO MESSAGE CARRIER
	Message type
15.2.2
	M
	V
	1

	
	MCVIDEO message
	MCVIDEO message
3GPP TS 24.281 [xx] subclause 17.1
	M
	V
	2-x



* * * Next Change * * * *
15.1.y	MCDATA MESSAGE CARRIER message
15.1.y.1	Message definition
This message is used to carry an MCDATA message.
For contents of the message see Table 15.1.21.1-1.
Message type:	MCDATA MESSAGE CARRIER
Direction:		UE to other UEs
Table 15.1.21.1-1: MCDATA MESSAGE CARRIER message content
	IEI
	Information Element
	Type/Reference
	Presence
	Format
	Length

	
	MCDATA MESSAGE CARRIER
	Message type
15.2.2
	M
	V
	1

	
	MCDATA message
	MCDATA message
3GPP TS 24.282 [yy] subclause 15.1.1
	M
	V
	2-x



[bookmark: _Toc20156443][bookmark: _Toc27501601][bookmark: _Toc36049727]* * * Next Change * * * *
15.2.2	Message type
The purpose of the Message type information element is to identify the type of the message.
The value part of the Message type information element is coded as shown in Table 15.2.2-1.
The Message type information element is a type 3 information element with a length of 1 octet.
Table 15.2.2-1: Message types
	Bits
	
	

	8
	7
	6
	5
	4
	3
	2
	1
	
	

	
	
	
	
	
	
	
	
	
	

	0
	0
	0
	0
	0
	0
	0
	1
	
	GROUP CALL PROBE

	0
	0
	0
	0
	0
	0
	1
	0
	
	GROUP CALL ANNOUNCEMENT

	0
	0
	0
	0
	0
	0
	1
	1
	
	GROUP CALL ACCEPT

	0
	0
	0
	0
	0
	1
	0
	0
	
	GROUP CALL EMERGENCY END

	0
	0
	0
	0
	0
	1
	0
	1
	
	GROUP CALL IMMINENT PERIL END

	0
	0
	0
	0
	0
	1
	1
	0
	
	GROUP CALL BROADCAST

	0
	0
	0
	0
	0
	1
	1
	1
	
	GROUP CALL BROADCAST END

	0
	0
	0
	0
	1
	0
	0
	0
	
	PRIVATE CALL SETUP REQUEST

	0
	0
	0
	0
	1
	0
	0
	1
	
	PRIVATE CALL RINGING

	0
	0
	0
	0
	1
	0
	1
	0
	
	PRIVATE CALL ACCEPT

	0
	0
	0
	0
	1
	0
	1
	1
	
	PRIVATE CALL REJECT

	0
	0
	0
	0
	1
	1
	0
	0
	
	PRIVATE CALL RELEASE

	0
	0
	0
	0
	1
	1
	0
	1
	
	PRIVATE CALL RELEASE ACK

	0
	0
	0
	0
	1
	1
	1
	0
	
	PRIVATE CALL ACCEPT ACK

	0
	0
	0
	0
	1
	1
	1
	1
	
	PRIVATE EMERGENCY CALL CANCEL 

	0
	0
	0
	1
	0
	0
	0
	0
	
	PRIVATE EMERGENCY CALL CANCEL ACK

	0
	0
	0
	1
	0
	0
	0
	1
	
	GROUP EMERGENCY ALERT

	0
	0
	0
	1
	0
	0
	1
	0
	
	GROUP EMERGENCY ALERT ACK

	0
	0
	0
	1
	0
	0
	1
	1
	
	GROUP EMERGENCY ALERT CANCEL

	0
	0
	0
	1
	0
	1
	0
	0
	
	GROUP EMERGENCY ALERT CANCEL ACK

	[bookmark: _Hlk39582426]0
	0
	0
	1
	0
	1
	0
	1
	
	MCDATA MESSAGE CARRIER

	0
	0
	0
	1
	0
	1
	1
	0
	
	MCVIDEO MESSAGE CARRIER

	All other values are reserved.



* * * End of Changes * * * *

