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	Reason for change:
	Imminent peril calls need to be treated the same as emergency calls in the terminating participating function procedures for pre-established sessions. The Resource-Priority header field is required in both cases to adjust the priority of the bearer resources and the emergency or imminent peril related needs to be communicated to the teminating client. Hence, the SIP INVITE with Replaces header field is sent to the terminating client.
Addition for this revision:

At CT1#108 it was agreed during discussion of TDoc C1-181203 "Call type indications for terminating clients using pre-established sessions" that a NOTE explaining that several call type indicators are not provided to terminating clients using pre-established sessions will be added to the subclauses in question. The rationale for this decision was that in the current specification, the terminating clients do not check for those call type indicators and take no action based on their presence or lack thereof.

At CT#108, cat F CRs were provided to address the lack of the imminent peril call indicator being provided to terminating clients using pre-established sessions, as this state would result in the client behaving incorrectly. These CRs are updated with the aforementioned NOTE for CT1#109.

	
	

	Summary of change:
	The conditional statements in subclauses 6.3.2.2.5.3 and 6.3.2.2.6.3 are modified to treat imminent peril calls the same as emergency calls.
A NOTE explaining the lack of certain call type indicators being provided to  terminating clients using pre-established sessions is added to subclause 6.3.2.2.5.3.
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***** Next change *****
6.3.2.2.5.3
Automatic commencement for pre-established session

NOTE:
This subclause is referenced from other procedures.
When receiving a "SIP INVITE request for terminating participating MCPTT function" for a pre-established session that requires automatic commencement mode the participating MCPTT function:

1)
if the received SIP INVITE request contains:

a)
an application/vnd.3gpp.mcptt-info+xml MIME body with the <mcpttinfo> element containing the <mcptt-Params> element with the <emergency-ind> element set to a value of "true" or with the <imminentperil-ind> element set to a value of "true"; or

b)
a Priv-Answer-Mode header field;


shall perform the procedures of subclause 6.3.2.2.5.2 with the following clarifications:

a)
include in the outgoing SIP INVITE request a Replaces header field populated with the call-id, to-tag and from-tag of the targeted pre-established session as specified in IETF RFC 3891 [65];

b)
include in the SDP offer the current media parameters used by the targeted pre-established session identified by the Replaces header field; and
c)
if the SIP core supports resource sharing, include in the outgoing SIP INVITE request a Resource-Share header field as specified in 3GPP TS 24.229 [4] with: 
i)
the value "media-sharing"; 
ii)
an "origin" header field parameter set to "session-receiver"; 

iii)
a "timestamp" header field parameter; and 
iv)
a "rules" header field parameter with one resource sharing rule per media stream in the same order the corresponding m-line appears in the SDP. Each resource sharing rule is constructed as follows:

-
a "new-sharing-key" part containing the same key as that included when the media bearer for the pre-established session was established; and

-
a "directionality" part indicating the direction of the pre-established media bearer;
and shall skip the remaining steps of this subclause;

2)
shall generate a SIP 200 (OK) response to the "SIP INVITE request for terminating participating MCPTT function" as described in the subclause 6.3.2.2.4.2;

3)
shall include in the SIP 200 (OK) response an SDP answer as specified in the subclause 6.3.2.2.2.2 based on the SDP negotiated during the pre-established session establishment and SDP offer received in the "SIP INVITE request for terminating participating MCPTT function";
4)
shall set the P-Answer-State header field to "Unconfirmed" in the SIP 200 (OK) response;
5)
shall set the P-Asserted-Identity header field to the same value as included in the SIP INVITE request that was sent by the MCPTT client when the pre-established session was established, in the SIP 200 (OK) response;
6)
shall send the SIP 200 (OK) response to the SIP INVITE request according to 3GPP TS 24.229 [4]; and

7)
shall interact with the media plane as specified in 3GPP TS 24.380 [5] clause 9.

NOTE:
Received SIP INVITE requests handled by the present subclause in steps 2) through 7) will result in the terminating client not receiving data normally contained in an application/ vnd.3gpp.mcptt-info+xml MIME body. This includes but is not limited to call type indicators such as XML elements <broadcast-ind> or <associated-group>.
***** Next change *****
6.3.2.2.6.3
Manual commencement for Pre-established session

When receiving a "SIP INVITE request for terminating participating MCPTT function" for a pre-established session that requires manual commencement mode the participating MCPTT function:
Editor's Note: The functionality in step 1) needs to be made generic, by moving it to clause 8. This is TBD.
1)
if:

a)
the received SIP INVITE request contains an application/vnd.3gpp.mcptt-info+xml MIME body with the <mcpttinfo> element containing the <mcptt-Params> element with the <emergency-ind> element set to a value of "true" or with the <imminentperil-ind> element set to a value of "true"; or

b)
if the Priv-Answer-Mode header field is present in the incoming SIP INVITE request;

then:
a)
shall perform the procedures of subclause 6.3.2.2.6.2 with the following clarifications:

i)
include in the outgoing SIP INVITE request a SIP Replaces header field populated with the call-id, to-tag and from-tag of the targeted pre-established session as specified in IETF RFC 3891 [65]; 

ii)
include in the SDP offer the current media parameters used by the targeted pre-established session identified by the Replaces header field; and

iii)
if the SIP core supports resource sharing, include in the outgoing SIP INVITE request a Resource-Share header field as specified in 3GPP TS 24.229 [4] with: 
A)
the value "media-sharing"; 
B)
an "origin" header field parameter set to "session-receiver"; 

C)
a "timestamp" header field parameter; and 
D)
a "rules" header field parameter with one resource sharing rule per media stream in the same order the corresponding m-line appears in the SDP. Each resource sharing rule is constructed as follows:

-
a "new-sharing-key" part containing the same key as that included when the media bearer for the pre-established session was established; and

-
a "directionality" part indicating the direction of the pre-established media bearer; and

b)
shall skip the remaining steps;

2)
shall generate a SIP re-INVITE request as described in subclause 6.3.2.2.3;
NOTE 1:
A SIP re-INVITE request cannot include an Answer-Mode header field as specified in IETF RFC 5373 [18] so Manual Answer is implied with a SIP re-INVITE request within the existing SIP dialog of the pre-established session.

3)
shall copy the contents of the application/vnd.3gpp.mcptt-info+xml MIME body of the incoming "SIP INVITE request for terminating participating MCPTT function" to the outgoing SIP re-INVITE request;

4)
shall include in the SIP re-INVITE request an SDP offer based on the SDP offer in the received SIP INVITE request as specified in the subclause 6.3.2.2.1; and
5)
shall send the SIP re-INVITE request towards the MCPTT client according to 3GPP TS 24.229 [4];

Upon receiving a SIP 180 (Ringing) response to the above SIP re-INVITE request, the participating MCPTT function:

NOTE 2:
A SIP 180 (Ringing) response is received from a terminating MCPTT client in the case of a private call.

1)
shall generate a SIP 180 (Ringing) response as specified in subclause 6.3.2.2.4.1;
2)
shall include the P-Asserted-Identity header field as received in the incoming SIP 180 (Ringing) response; and

3)
shall forward the SIP 180 (Ringing) response according to 3GPP TS 24.229 [4].

Upon receiving a SIP 183 (Session Progress) response to the above SIP re-INVITE request, the participating MCPTT function:

NOTE 3:
A SIP 183 (Session Progress) response can be received from a terminating MCPTT client in the case of a group call.

1)
shall generate a SIP 183 (Session Progress) response as specified in subclause 6.3.2.2.4.1;

2)
shall include the P-Asserted-Identity header field as received in the incoming SIP 183 (Session Progress) response;

3)
shall include the P-Answer-State header field as received in the incoming SIP 183 (Session Progress) request; and
4)
shall forward the SIP 183 (Session Progress) response according to 3GPP TS 24.229 [4].

Upon receiving a SIP 200 (OK) response to the SIP re-INVITE request, the participating MCPTT function:

1)
if the received SDP answer includes changes in codecs or media formats, shall interact with the media plane as specified in 3GPP TS 24.380 [5] for updating the media plane with the newly negotiated codecs and media parameters from the received SDP answer;
2)
shall generate a SIP 200 (OK) response as described in the subclause 6.3.2.2.4.2;
3)
shall copy the P-Asserted-Identity header field from the incoming SIP 200 (OK) response to the outgoing SIP 200 (OK) response;
4)
shall include in the SIP 200 (OK) response, an SDP answer based on the SDP answer in the received SIP 200 (OK) response, as specified in subclause 6.3.2.2.2.1;

5)
shall interact with the media plane as specified in 3GPP TS 24.380 [5]; and

NOTE 4:
The participating MCPTT function sends a MCCP Connect message, in order to give MCPTT session identity to the terminating MCPTT client.

6)
shall send the SIP 200 (OK) response to the SIP INVITE request according to 3GPP TS 24.229 [4].

***** End changes *****
