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	Reason for change:
	Currently version 08 of draft-ietf-mmusic-data-channel-sdpneg is referenced. The latest version in IETF is 11.

From the change log of the draft (issues highlighted in bold have direct impacts to CT1 specs):

10.1.  Changes against 'draft-ietf-mmusic-data-channel-sdpneg-10'

   o  Removal of the "a=connection" attribute lines from all SDP

      examples.

10.1.  Changes against 'draft-ietf-mmusic-data-channel-sdpneg-09'

   o  In the introduction:

      *  Replacement of the sentence "The RTCWeb working group has

         defined the concept of bi-directional data channels running on

         top of SCTP/DTLS (SCTP over the Datagram Transport Layer

         Security protocol)" with "The RTCWeb working group has defined

         the concept of bi-directional data channels running on top of

         the Stream Control Transmission Protocol (SCTP)".

      *  Addition of following sentences to the second paragraph: "These

         procedures are based on generic SDP offer/answer negotiation

         rules for SCTP based media transport as specified in

         [I-D.ietf-mmusic-sctp-sdp] for the SDP "m" line proto values

         UDP/DTLS/SCTP and TCP/DTLS/SCTP.  In future data channels could

         be defined over other SCTP based protocols, such as SCTP over

         IP.  However, corresponding potential other "m" line proto

         values are not considered in this document."

   o  Replacement of "DTLS connection" with "DTLS association"

      throughout the document.

   o  In sections Section 5.1.1.2 and Section 5.1.2.2 removal of the

      sentences "This document also does not specify multiplexing rules

      for this attribute for SCTP or SCTP/DTLS proto values".

   o  In the text related to "Subsequent SDP answer" in section

      Section 5.2.5 replacement of "The DTLS/SCTP association remains

      open ..." with "The SCTP association remains open ...".

   o  In the text after the second SDP answer in section Section 6

      replacement of "... (after SCTP/DTLS association is setup)" with

      "... (after the SCTP association is set up)".

   o  Addition of [I-D.ietf-mmusic-dtls-sdp] to the list of informative

      references.

   o  Addition of "a=dtls-id" attribute lines to the SDP offer/answer

      examples in Section 6.

10.2.  Changes against 'draft-ietf-mmusic-data-channel-sdpneg-08'

   o  Addition of definition of "data channel subprotocol" to Section 3

      as proposed on the MMUSIC list, https://www.ietf.org/mail-

      archive/web/mmusic/current/msg15827.html.

   o  Addition of [I-D.ietf-mmusic-rfc4566bis] to list of normative

      references.

   o  Updates of tables in Section 8.2.1 and Section 8.2.2 as per

      section 8.2.4 of [I-D.ietf-mmusic-rfc4566bis].

   o  Addition of new Section 8.3.

These changes impact the current text in subclauses 7.4.5.1 and 7.4.5.2 in rel-14 to indicate that multiple fingerprints are possible and to add an "a=dtls-id" SDP attribute.

	
	

	Summary of change:
	Reference to draft-ietf-mmusic-data-channel-sdpneg is updated to version 11.

In addition, in rel-14 update media plane optimization procedures in subclauses 7.4.5.1 and 7.4.5.2:

a=dtls-id is used,
multiple fingerprints are possible.

	
	

	Consequences if not approved:
	WebRTC data channel procedures are not alligned with status in IETF.
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