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3.3
Abbreviations

For the purposes of the present document, the abbreviations given in 3GPP TR 21.905 [1] and the following apply. An abbreviation defined in the present document takes precedence over the definition of the same abbreviation, if any, in 3GPP TR 21.905 [1].

18x
A SIP status-code in the range 180 through 189

2xx
A SIP status-code in the range 200 through 299

3PTY
Three-Party
3xx
A SIP status-code in the range 300 through 399

4xx
A SIP status-code in the range 400 through 499

6xx
A SIP status-code in the range 600 through 699

ACR
Anonymous Communication Rejection
AOC
Advice Of Charge
AS
Application Server
ATCF
Access Transfer Control Function

B2BUA
Back 2 Back User Agent

BGCF
Breakout Gateway Control Function

CAT
Customized Alerting Tone

CB
Communication Barring

CCBS
Completion of Communications to Busy Subscriber

CCNL
Completion of Communications on Not Logged-in
CCNR
Communication Completion on No Reply

CDIV
Communication Diversion

CONF
Conference
CRS
Customized Ringing Signal

CW
Communication Waiting

DRVCC
Dual Radio Voice Call Continuity

ECT
Explicit Communication Transfer

FA
Flexible Alerting

GRUU
Globally Routable User agent URIs

HOLD
Communication HOLD

IBCF
Interconnection Border Control Function

ICB
Incoming Communication Barring

ICID
IMS Charging Identifier
ICS
IMS Centralized Services

I-CSCF
Interrogating CSCF
II-NNI
Inter-IMS Network to Network Interface

IM
Instant Messaging

IMS-ALG
IMS Application Level Gateway

IOI
Inter Operator Identifier
IUT
Inter UE Transfer
MCID
Malicious Communication IDentification
MCPTT
Mission Critical Push-To-Talk
MMTEL
Multimedia Telephony
MPS
Multimedia Priority Service
MRB
Media Resource Broker

MRFC
Media Resource Function Controller
MRFP
Multimedia Resource Function Processor
MSRP
Message Session Relay Protocol

MWI
Message Waiting Indication

NA(P)T-PT
Network Address (Port-Multiplexing) Translation-Protocol Translation

NNI
Network to Network Interface

OCB
Outgoing Communication Barring

OIP
Originating Identification Presentation

OIR
Originating Identification Restriction

OMA
Open Mobile Alliance
OMR
Optimal Media Routeing
P-CSCF
Proxy CSCF

PCRF
Policy and Charging Rules Function

PNM
Personal Network Management

PRES
Presence

RTT
Round-trip Time

SRVCC
Single Radio Voice Call Continuity

TIP
Terminating Identification Presentation

TIR
Terminating Identification Restriction
TRF
Transit and Roaming Function

TrGW
Transition Gateway

vSRVCC
Single Radio Video Call Continuity
* * * Next Change * * * *

X
Mission Critical Push-To-Talk (MCPTT)
Editor's note: More requirements over II-NNI are FFS.

* * * Next Change * * * *

X.1
General
In order to assure the end-to-end service interoperability through the II-NNI, the associated services of the Mission Critical Push To Talk (MCPTT) communication may be supported on the II-NNI. The support of the MCPTT communication service is based on the business relationships defined in 3GPP TS 23.179 [bbb] clause 6.
The MCPTT communication service is identified by means of the "urn:urn-7:3gpp-service.ims.icsi.mcptt" URN (defined in annex D of 3GPP TS 24.379 [xxx]). The "urn:urn-7:3gpp-service.ims.icsi.mcptt" can appear in:

-
the media feature tag "g.3gpp.icsi-ref" (specified in 3GPP TS 24.229 [5] clause 7.9.2) in the Contact header field and the Accept-Contact header field; and

-
the P-Asserted-Service header field.

If the MCPTT communication service is supported, the related procedures from 3GPP TS 24.379 [xxx] and 3GPP TS 24.380 [yyy] shall be applied with the requirements in the clauses below due to the crossing of the II-NNI.
* * * Next Change * * * *

X.2
Interoperability of MCPTT communication service over II-NNI
Service specific requirements in accordance with 3GPP TS 22.179 [aaa] and 3GPP TS 24.379 [xxx] shall be supported over the II-NNI.
The "g.3gpp.mcptt" media feature tag (defined in annex C of 3GPP TS 24.379 [xxx]) in the Contact header field of the INVITE request and responses to the INVITE request shall be supported at the II-NNI.

The "g.3gpp.icsi-ref" media feature tag (defined in 3GPP TS 24.229 [5] clause 7.9.2) with the value "urn:urn-7:3gpp-service.ims.icsi.mcptt" (defined in annex D of 3GPP TS 24.379 [xxx]) in the Contact header field of the INVITE request and responses to the INVITE request shall be supported at the II-NNI.

The media feature tag "isfocus" (defined in IETF RFC 3840 [56]) in the Contact header field of the INVITE request and responses to the INVITE request shall be supported at the II-NNI.
The P-Asserted-Service header field with the value "urn:urn-7:3gpp-service.ims.icsi.mcptt" of the INVITE request shall be supported at the II-NNI.
The P-Preferred-Service header field with the value "urn:urn-7:3gpp-service.ims.icsi.mcptt" of the INVITE request shall be supported at the roaming II-NNI.

The "g.3gpp.mcptt" media feature tag along with the "require" and "explicit" header field parameters according to IETF RFC 3841 [51] in the Accept-Contact header field of the INVITE request and REFER request shall be supported at the II-NNI.

The "g.3gpp.icsi-ref" media feature tag with the value "urn:urn-7:3gpp-service.ims.icsi.mcptt" and with the "require" and "explicit" header field parameters in the Accept-Contact header field of the INVITE request and REFER request shall be supported at the II-NNI.
The m-line "m=application <portnumber> UDP MCPTT" and associated parameters in the "a=fmpt:MCPTT" media line attribute shall be supported at the II-NNI.
* * * End of Changes * * * *

