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***** NEXT MODIFICATION *****
6.3.3
SCC AS providing the PS to CS SRVCC related information to the ATCF
In order to provide the PS to CS SRVCC related information to the ATCF, the SCC AS shall perform the role of an AS acting as originating UA according to 3GPP TS 24.229 [2] subclause 5.7.3 using the procedure for sending an initial request on behalf of a PSI and shall send a SIP MESSAGE request populated as follows:

1)
the Request-URI set to the ATCF management URI of the ATCF associated with the registration path (or registration flow, if multiple registration mechanism is used);

NOTE 1:
The ATCF management URI of the ATCF is the URI contained in the g.3gpp.atcf-mgmt-uri feature-capability indicator that is included in a Feature-Caps header field of the SIP REGISTER request which the S-CSCF received from the UE using the method to obtain registration state information described in step a) of subclause 6.3.1.
2)
the P-Asserted-Identity header field containing the identity of the SCC AS;

3)
the application/vnd.3gpp.SRVCC-info+xml MIME body as defined in clause D.3;
NOTE 2:
The ATCF URI for terminating calls of the registration path (or registration flow, if multiple registration mechanism is used) is contained in the g.3gpp.atcf-path feature-capability indicator that is included in a Feature-Caps header field of the SIP REGISTER request which the S-CSCF received from the UE using the method to obtain registration state information described in step a) of subclause 6.3.1.
4)
the P-Charging-Vector header field containing a type 1 "orig-ioi" header field parameter. The SCC AS shall set the type 1 "orig-ioi" header field parameter to a value that identifies the sending network of the request. The SCC AS shall not include the type 1 "term-ioi" header field parameter; and
5)
 if the SCC AS supports indicating the traffic leg associated with a URI as specified in IETF RFC 7549 [83], the UE is roaming and if required by local policy, the SCC AS shall:

a)
append the "iotl" SIP URI parameter to the URI in the Request-URI with a value set to "homeB-visitedB";

b)
if required by local policy, the SCC AS may append an "iotl" SIP URI parameter with a value set to "visitedA-homeA" to:

-
the ATU-STI URI in the the application/vnd.3gpp.SRVCC-info+xml MIME body defined in clause D.3; and
-
the additional transferred session SCC AS URI for PS to CS SRVCC in the Refer-To URI of SIP REFER requests.
NOTE 3:
The SCC AS can use the P-Visited-Network-Identity header field in the 3rd party SIP REGISTER request received when the UE registered in PS to determine if the UE is roaming or not.
***** NEXT MODIFICATION *****
6A.6.1
The SCC AS server procedure for indicating traffic leg

If the SCC AS supports indicating the traffic leg associated with a URI as specified in IETF RFC 7549 [83] and the UE is roaming, the SCC AS may append the "iotl" SIP URI parameter with the value "visitedA-homeA" to the additional transferred session SCC AS URI for PS to CS SRVCC in the Refer-To URI of SIP REFER requests.
NOTE:
The SCC AS can use the P-Visited-Network-Identity header field in the 3rd party SIP REGISTER request received when the UE registered in PS to determine if the UE is roaming or not.
***** NEXT MODIFICATION *****
6A.6.2
The MSC server procedure for indicating traffic leg
If the MSC supports indicating the traffic leg associated with a URI as specified in IETF RFC 7549 [83]:

1)
the UE is roaming; and
2)
the STN-SR does not identify an ATCF in the visited network;
then the MSC server shall, if required by local policy:

1)
convert the STN-SR in the Request-URI to the form of a SIP URI with user=phone; and
2)
append an "iotl" SIP URI parameter with a value set to "visitedA-homeA" in the Request-URI of the SIP INVITE request due to STN-SR and, if vSRVCC is supported and applied, in the SIP OPTIONS request.

***** NEXT MODIFICATION *****
6A.6.3
The ATCF server procedure for indicating traffic leg
If the ATCF supports indicating the traffic leg associated with a URI as specified in IETF RFC 7549 [83]: 

1)
the UE is roaming; and

2)
the ATCF is not in the home network;

then the ATCF may, if required by local policy and if ATCF support the PS to CS SRVCC access transfer, append an "iotl" SIP URI parameter with a value set to "homeB-visitedB" to the ATCF management URI in the g.3gpp.atcf-mgmt-uri feature-capability indicator of the SIP REGISTER request.

***** END MODIFICATION *****
