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12.2.4.x
Moving from a 3GPP access to non-3GPP access colliding with SRVCC access transfer
If the SC UE engaged in one or more IMS sessions receives a handover command from the eNodeB (as described in 3GPP TS 36.331 [62]) or from the NodeB (as described in 3GPP TS 25.331 [61]) when the UE is engaged in moving the PDN connection from an 3GPP access to a non-3GPP access as described in 24.302 [xxx], the UE shall either:

1)
accept the handover command and abort the move to the non-3GPP access; or 

2)
continue with the move to the non-3GPP access and ignore the handover command.

If the SC UE continues with the move to the non-3GPP access, the SC UE shall for each transferred session send a SIP re-INVITE request containing:

1)
an SDP offer, including the media characteristics as used in the existing dialog; and

2)
a Reason header field containing protocol "SIP" and reason parameter "cause" with value "487" as specified in IETF RFC 3326 [57];
NOTE:
The reason-text text in the Reason header field can be set to either "handover cancelled" or "failure to transition to CS domain".
by following the rules of 3GPP TS 24.229 [2].
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